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auto



call





cti csta mode basic 267

cti message device-id



debug ephone register 342

debug ephone sccp-state 344

debug ephone shared-line-mixed



dnd (voice register pool) 416

dnd feature-ring 417

dnd-control (voice register template) 419

dn-webedit 420

dst (voice register q )
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max-dn



mwi relay 769

mwi sip 770

mwi sip-server 772

mwi stutter (voice register global) 775

mwi-line 776

mwi-type 779
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num-buttons 847

num-line 849
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param queue-overflow-extension 918

param secondary-prefix 920

param second-greeting-time 922

param send-account true 924

param service-name 926

param store-did-max 928

param store-did-min 930

param voice-mail 932

param welcome-prompt 934



pin







show ephone remote 1194

show ephone ringing



show telephony-service ephone-dn-template 1291

show telephony-service ephone-template



show voice register pool type summary 1391

show voice register pool unregistered 1392

show voice register profile 1394

show voice register session-server 1397

show voice register statistics 1399

show voice register template 1403

show voice register tftp-bind 1407

shutdown(telephony-service) 1410

sip-prefix 1412

snr�V�Q�U



srst

srstsrst



transfer-blind (voice register template) 1540

transfer-digit-collect 1542

transfer-mode 1544

transfer-park blocked 1546

transfer-pattern (telephony-service) 1548

transfer-pattern blocked 1550

transfer-system 1552

translate (ephone-dn) 1556

translate callback-number 1558

translate-outgoing (voice register pool) 1560

translation-profile 1562

translation-profile incoming



user-locale (telephony-service) 1619

user-locale (voice register) 1625

username (ephone) 1629

username (voice register pool) 1631

utf8 1633
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ವ accept, page 3

ವ access-digit, page 6

ವ addons, page 8

ವ address (voice emergency response location), page 10

ವ addons, page 12

ವ after-hour exempt, page 14

ವ after-hour login http, page 16

ವ after-hours block



ವ authentication credential, page 49

ವ auto assign, page 51

ವ auto-assign (auto-register), page 58

ವ auto logout, page 60

ವ auto logout (voice hunt-group), page 6464



accept
To allow a logical partitioning class of restriction (LPCOR) policy to accept calls associated with another
resource-group, use the



Examples





access-digit
To define the access



DescriptionCommand

Enables preemption capability on a trunk group.SUHHPSWLRQ WUXQNJURXS

Enables preemption capability for all supported
phones.

SUHHPSWLRQ XVHU
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address (voice emergency response location)
To define









after-hour exempt





after-hour login http
To unblock an individual IP phone in Cisco Unified CME that is configured for after-hour call blocking, use
the DIWHU�KRXU ORJLQ KWWS command



Related Commands DescriptionCommand

Defines a pattern of digits for blocking outgoing calls
from IP phones.

DIWHU�KRXUV EORFN SDWWHUQ





http://www.cisco.com/en/us/partner/docs/ios/termserv/configuration/guide/tsv_reg_express_ps11746_tsd_products_configuration_guide_chapter.html
http://www.cisco.com/en/us/partner/docs/ios/termserv/configuration/guide/tsv_reg_express_ps11746_tsd_products_configuration_guide_chapter.html




after





after-hours day
To define a recurring



Usage Guidelines Use this command to define call blocking during the hours between the start time and stop time on the day



after-hours override-code
To specify that a defined blocking pattern can be overridden, use the DIWHU�KRXUV RYHUULGH�FRGH command
in ephone-template or telephony-service configuration





after



do not specify the DIWHU�KRXUV SVWQ�SUHIL[ command, then



allow watch



Related Commands



anonymous block
To enable anonymous call blocking in a SIP phone template2O e anonymo blo



application (telephony-service)
To select



application (voice register global)
To select the session-level application for all dial peers associated with Session Initiation Protocol (SIP)
phones, use the DSSOLFDWLRQ command in voice register global configurM seSᨮ㈹㌰こOLFDWLRQ



Related Commands DescriptionCommand

Enables a specific application on a dial peer.DSSOLFDWLRQ �GLDO�SHHU�

Selects the session-level application



application (voice register pool)
To select the session-level application for the dial peer associated with an individual Session Initiation Protocol
(SIP) phone in a Cisco Unified CallManager Express (Cisco Unified



Configure the LG (voice register pool) command before any other voice register pool



apply-config
To dynamically apply the phone configuration on Cisco Unified SIP



ata-ivr-pwd



attempted-registrations size
To set the size of the table that shows a number of attempted-registrations, use the attempted- registrations
command in voice register global mode. To set the size of attempted-registrations table to



Examples The following example shows attempted-registrations size:

Router# conf t
Router(config)#voice



attendant-console
To specify the phone number of the MLPP attendant-console service, use the DWWHQGDQW�FRQVROH command
in voice MLPP configuration mode. moP





audible-tone
To











DescriptionCommand

Defines a username and password for authenticating
SIP phones.

XVHUQDPH �YRLFH UHJLVWHU SRRO�

   Cisco Unified Communications Manager Express Command Reference
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authenticate (voice register global)



authentication credential
To create an entry for an applicationಬs credential in the database used by the Cisco Unified CME authentication
server, use the DXWKHQWLFDWLRQ FUHGHQWLDO command in telephony-service configuration mode. To remove the
credential, use the QR form of this command.

DXWKHQWLFDWLRQ FUHGHQWLDO DSSOLFDWLRQ�QDPH SDVVZRUG

QR DXWKHQWLFDWLRQ FUHGHQWLDO DSSOLFDWLRQ�QDPH SDVVZRU



phone













The following example shows how to enter the ephone-dn configuration and create ephone-dns configurations,
tags 1-4, each having a single primary number:

Router(config)# HSKRQH�GQ �
Router(config-ephone-dn)# QXPEHU ����
Router(config-ephone-dn)# H[LW
Router(config)# HSKRQH�GQ �
Router(config-ephone-dn)# QXPEHU ����
Router(config-ephone-dn)# H[LW
Router(config)# HSKRQH�GQ �
Router(config-ephone-dn)# QXPEHU ����
Router(config-ephone-dn)# H[LW





auto-assign (auto-register)
To configure the mandatory DN range for automatic registration of SIP phones with the Cisco Unified CME
system, use the DXWR�DVVLJQ





auto logout
To enable





When an agent who is a dynamic member of a hunt grouq q ɮ ue iM a nagent



Router(config)# HSKRQH �





Examples In the following example, voice



auto-answer
To enable the intercom auto-answer feature on a SIP phone extension, use the DXWR�DQVZHU command in voice
register dn configuration









auto-network-detect
To enable phones to automatically detect whether they are inside the corporate network or not, use the
DXWR�QHWZRUN�GHWHFW command



password-persistent enable
host-id-check enable

vpn-profile 4
fail-connect-time 50

sip
!
!

Related Commands DescriptionCommand

Defines a VPN-profile.YSQ�SU



auto-register
To enable automatic registration of





auto-reg-ephone



Related Commands











background save interval
T



bandwidth video tias-modifier
To set the maximum video bandwidth bytes per second (bps) for SIP



create



blf-speed-dial
To enable Busy Lamp Field (BLF) monitoring for a speed-dial number on a phone registered to Cisco Unified
CME, use the EOI�VSHHG�GLDO command



Usage Guidelines This

http://www.cisco.com/en/US/docs/voice_ip_comm/cucme/ip_phones/roadmap/cucme_phone_roadmap.html




bnea
To specify the audio file used for the busy station not equipped for preemption announcement, use the EQHD
command in voice MLPP configuration mode. To disable use of this audio file, use the QR form of this



Related Commands



bpa
To specify the audio file used for the blocked precedence announcement, use the ESD command in voice
MLPP configuration mode. To disable use of this audio file, use the QR form of this command.

ESD DXGLR�XUO

QR ESD

Syntax Description Location of the announcement audio file in URL
format. Valid



Router(config-voice-mlpp)# ESD IODVK�ESD�DX

Related Commands



bulk
To set bulk registration for E.164 numbers that will register with SIP proxy server, use the EXON command in
voice register global configuration mode. To



Related Commands





bulk-speed-dial list 6







busy-trigger-per-button (voice register pool)
To set the maximum



Related Commands DescriptionCommand

Disables call hunting behavior for a directory number
on a SIP phone.

KXQWVWRS �YRLFH UHJLVWHU GQ�

Sets the maximuma

�S�K�1 614.801 Tm
(�W�K�H)51.08321000P�H�V



button
To associate





ModificationCisco ProductCisco IOS Release

�7�K�L�V�F�R�P�P�D�Q�G�Z�D�V



A feature ring



In





The





button-layout (voice register template)
To organize the order of the display of all





button-layout
To configure a fixed set of line or feature buttons in an ephone-template which can then be applied to a
supported IP phone in



Command History



DescriptionCommand �'�L�V�S�O�D�\�V �H�S�K�R�Q�H���W�H�P�S�O�D�W�H

�F�R�Q�I�L�J�X�U�D�W�L�R�Q�V��

�V�K�R�Z �W�H�O�H�S�K�R�Q�\���V�H�U�Y�L�F�H �H�S�K�R�Q�H���W�H�P�S�O�D�W�H�W� 2259 .9









call application voice aa-hunt
Effective with Cisco







call application voice aa-name
Effective with Cisco IOS Release 12.3(14)T and later, the



Router(config)# FDOO



call application voice aa-pilot
Effective



Examples The



call application voice call-retry-timer
Ef



ವ A menu option is selected that attempts to transfer the call to an ephone hunt group pilot number ₨





Callers who select the extension access option can then dial any







call application voice handoff-string
Cisco IOS Release 12.3(14)T and laterC

i

s

c

o

aC nd E d C



call application voice max-extension-length
Cisco IOS Release 12.3(14)T and later releases support Cisco Unified CMEBasic Automatic Call Distribution
(B-ACD) andAuto-Attendant (AA) Tcl scripts version U and and c rs ric M ann r ti r a r rr r tt tt an





ವ A menu option is selected that transfers the call to an ephone hunt-group pilot









Examples





ವ





call application voice queue-manager-debugs
Effective with Cisco IOS Release 12.3(14)T and later, the



Examples The following example configures a Cisco CMEB-ACD call queue script to enable debugging for the collection
of data for the GHEXJ3〰しKH



call application voice second-greeting-time
Effective with Cisco



The second-greeting time is clocked when the second-greeting message begins, not after it ends. For example,
if the second greeting were 15 seconds in length and the configured second-greeting time were 70 seconds,
the greeting would begin



call application voice service-name
Cisco IOSRelease 12.3(14)T and later releases support Cisco CMEBasic Automatic Call Distribution (B-ACD)
and Auto-Attendant (AA) Tcl



call application voice voice-mail
Effective with Cisco IOS Release 12.3(14)T and



Router(config)# FDOO DSSOLFDWLRQ YRLFH DD YRLFH�PDLO ����

Related Commands



call application voice welcome-prompt
Effective with Cisco IOS Release



The filenamemust be



callback (voice emergency response settings)
To route an E911 callback to another





caller-id
To specify whether to pass the local caller ID or the original caller ID with calls from an extension in Cisco
Unified CME



Examples The



caller-id block (ephone-dn and ephone-dn-template)
To



If you use an ephone-dn template to apply a command to an



caller-id block (voice register template)

Effective with Cisco IOS Release 12.4(11)XJ, the FDOOHULG EORFN �YRLFH U



Related Commands



caller-id block code (telephony-service)
To set a



call-feature-uri
To specify the uniform resource identifier (URI) for soft keys on SIP phones registered to a Cisco Unified
CME router, use the FDOO�IHDWXUH�XUL command in voice register global configuration mode. To remove a
URI association, use the QR form of this command.

FDOO�IHDWXUH�XUL

ucoma= fe oma k fe om M ɷ fe M fe M ŧ alM ŧ al ŧ forͬ ŧ no ŧ k ŧ om ľk eRr ľ





call-forward
To globally apply dialplan-pattern expansion to redirecting numbers for extension numbers associated with
SCCP IP phones in Cisco Unified CME, use the FDOO�IRUZDUG V\VWHP command in telephony-service
configuration



Related Commands



call-forward (voice register)
To



Router(config-register-global)# FDOO�IRUZDUG V\VWHP UHGLUHFWLQJ�H[SDQGHG

Related Commands



call-forward all



Examples The following example shows how to set call forwarding of all calls on directory number 5001 to directory
number 5005. All



call-forward b2bua all
To



The FDOO�IRUZDUG E�EXD DOO command takes precedence over the FDOO�IRUZDUG E�EXD EXV\ and FDOO�IRUZDUG
E�EXDĹ㘮樊ㄠ〠〠ㄠㄴ㐠㘸㘮䐀儀䜀



call-forward b2bua busy
To enable call forwarding for a Session Initiation Protocol (SIP) back-to-back user agent (B2BUA) so that
incoming calls to a busy extension are forwarded to another extension,for KbuM im



We recommend that you



call-forward b2bua mailbox



We recommend that you do not use this command to configure a SIP extension or SIP IP phone that is a
member of a hunt group. If this command is configured for a member of a hunt group,







Related Commands



call-forward b2bua noan
To enable call forwarding for £ l





call-forward b2bua unreachable

Effective with Cisco IOS



Examples



call-forward busy
To configure call forwarding so that incoming calls to a busy extension (ephone-dn) are forwarded to another
extension, use



Usage Guidelines The call forwarding mechanism is applied to an individual extension (ephone-dn) and is not applied to the
phone on which the extension appears.

Normally, call forwarding is applied to all dial pee





call-forward max-length
To restrict the number of digits that cao he bmb e ethe



Examples The following example restricts



call-forward night-service
To automatically forward calls to another number during



Examples The following example establishes night-service hours from 1 p.m. Saturday until 8 a.m. Monday. During
that time, calls to extension 1000 p a on to extension thattc night-service s i rrr ongto



call-forward noan





The



call-forward pattern





calling-number local
To replace a



number. If both numbers are registered with the gatekeeper, the primary number is the number that appears
as the calling number.

If the ephone-dn used by a forwarding party has a secondary number in addition to its primary number and
the FDOOLQJ�QXPEHU ORFDO VHFRQGDU\ command is used, the secondary



ephone-dn 1
number





callqueue-display
To configure call waiting notification display on the agent phone as continuous, periodic, or off, use the
FDOOTXHXH GLVSOD\ command. To set the call waiting notification display to the default state of periodic (for
voice hunt group) and continuous (for ephone hunt group), use the GHIDXOW



call-park system
To define system parameters for the Call Park feature,



Related Commands



call-waiting (voice register pool)
To enable call-waiting option on a



call-waiting beep
To allow call-waiting beeps to be accepted by or generated from an ephone-dn, use the FDOO�ZDLWLQJ EHHS
command in ephone-dn or ephone-dn-template configuration mode. To disable the acceptance andQ tance



If you configure a button to have a silent ring using the V option of the EXWWRQ command, you will not hear a
call-waiting beep regardless of whether the ephone-dn associated with the button is configured to generate a
call-waiting beep.

If you use an ephone-dn template to apply a command to an ephone-dn and you also use the same command
in ephone-dn configuration mode for the same ephone-dn, the

tvlsu

the

tM

sae

inephone-dn

configuration

mode

me

mpinointmqmTemoritgm-ymonfiguredm-



call-waiting ring
T



The call-waiting ring option cannot be used on the Cisco Unified IP Phone 7902, Cisco Unified IP Phone
7905,



camera
To enable USB camera capability on Cisco Unified IP Phones 9951 and 9971, use









capf-server
To enter CAPF-server configuration mode to set CAPF server parameters, use the FDSI�VHUYHU command in
global configuration mode. To remove the CAPF server configuration, use the QR form of this command.

FDSI�VHUYHU

QR FDSI�VHUYHU

Syntax Description This command has no keywords or arguments.

Command Default No CAPF server configuration is present.

Command Modes.913 Tm
(Command Default)213V500E�D�O



cert-enroll-trustpoint
To enroll the



Examples





Related Commands DescriptionCommand

Displays active CTI sessions.VKRZ FWL VHVVLRQ



clear telephony-service conference hardware number
To drop all conference



clear telephony-service ephone-attempted-registrations
To empty the log of ephones that unsuccessfully







clear voice lpcor statistics
To clear all logical partitioning class of restriction





clear voice register attempted-registrations
To clear the attempted-registrations, use the clear voice register attempted-registrations command in voice
register global mode.

FOHDU YRLFH UHJLVWHU DWWHPSWHG UHJLVWUDWLRQV [LS LS�DGGUHVV|PDF +.+.+]

Syntax Description (Optional) IP address of the SIP phone attempting ar



Related Commands



cnf-file
To specify the generation of different phone configuration files by type of phone or by individual phone, use
the FQI�ILOH command in telephony-service configuration mode. To return to the default, use the QR form of
this command.

FQI�ILOH {SHUSKRQHW\SH_ SHUSKRQH}

QR FQI�ILOH {SHUSKRQHW\SH_ SHUSKRQH}

Syntax Description





cnf-file location
To



ವ Flash





Usage Guidelines This command can be used to help save

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/admin/configuration/guide/cmetrnsc.html




codec (telephony-service)
To select a default codec for SCCP IP phones in Cisco Unified CME, use



Related Commands













Related Commands





Related Commands



conference admin
To









conference drop-mode
To configure themode







The following example shows how to configure



conference hardware
To configure a Cisco Unified CallManager Express system for hardware conferencing only, use the



Related Commands



conference hardware (voice register global)
To configure CiscoUnified CommunicationsManager Express (CiscoUnified CME)DSPFarm hardware-based
ad-hoc conferencing, use the FRQIHUHQFH KDUGZDUH command



Related Commands







conference-pattern blocked
To prevent extensions on an ephone or a voice register pool from





conference transfer-pattern
To configure a Cisco Unified CallManager



cor (ephone-dn)
This command is now documented as the FRUOLVW command. For complete command information, see the
FRUOLVW command page.

   Cisco Unified Communications Manager Express Command Reference
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cor (ephone-dn)



cor (voice register)
To configure a class of restriction (COR) on the VoIP dial peers associated with directory numbers, use the
FRU command in voice register pool or voice register template configurationmode.



ModificationCisco Productfication





corlist
This command



administrators to block calls (for example, calls to 900 numbers), and applies different restrictions to call
attempts from



create cnf-files
To build the eXtensible Markup Language (XML) configuration files that are required for IP



DescriptionCommand

Specifies a storage location for phone configuration
files



create cnf-files (voice-gateway)
To generate the eXtensible Markup Language (XML) configuration files that are required to autoconfigure
the Cisco voice gateway, use the FUHDWH FQI-ILOHV command in voice-gateway configuration mode. To disable
the



DescriptionCommand �3�H�U�I�R�U�P�V

�D �I�D�V�W �U�H�V�W�D�U�W



create profile (voice register global)
To generate the











cti csta mode basic
To set the CTI interface in Cisco Unified CME into basic mode, use the FWL FVWD PRGH EDVLF command in
voice-service configuration mode. To return to default, use the QR form of this command.

FWL FVWD PRGH EDVLF

QR FWL FVWD PRGH EDVLF

Syntax Description This command has no arguments or keywords.

Command Default CTI interface is in advanced mode.

Command Modes Voice-service configuration (config-voi-serv)

Command History



cti message device-id suppress-conversion



Cisco Unified Communications Manager Express Command Reference    



cti notify
To force an ephone-dn into a constant ಯupರ state, use









cti-aware
To bind a session to the CTI subsystem, use the FWL DZDUH command in voice session-server configuration
mode. To return to default, use the QR form of this command.

FWL�DZDUH





ctl-client
To









ವ debug ephone qov, page 337

ವ debug ephone raw, page 340

ವ debug ephone register, page 342

ವ debug ephone sccp-state, page



ವ direct-inward-dial isdn, page 409

ವ directory, page 411

ವ directory entry, page 413

ವ display-logout, page 415

ವ dnd (voice register pool), page 416

ವ dnd feature-ring, page 417

ವ dnd-control (voice register



date-format (telephony-service)
To set the date



date-format (voice register global)
To







filtering disabled
Logging Exception size (4096 bytes)
Count and timestamp logging messages: disabled
Persistent logging: disabled
Trap logging: level informational, 461 message lines logged

Log Buffer (1000000 bytes):
Jun 4 22:30:24.222: //CMM/INFO:
Jun 4 22:30:24.222: //CMM/INFO:
Jun 4 22:30:24.222: //CMM/INFO:cmm_notify_trigger()=〮ぐ/CMc〠〠ㄠ㌱㘮㠠㘶估ᴀ✴⁔洊⠀′㈰㘹〒CMU‶㤲⸵㐴㐰‱″㌶‶㘷⸱〳㌶‶㔰⸱〸‶㘷⸱〴⁔洊⠀☶⸱㌶〒CMU　ጀ᐀ᤩ呪਱‰‰‱′㠲㐰‱″㌶‶㘷⸱〱〴⁔洊⠀⠰堘ሀ☀　〮㘠㘵〮ㄳ㘠㘵〮ㄳ㘠㘵〮〠〠ㄠ㌳㘳16⥔樊ㄠ〠〠ㄠ㈸㈱⥔樊ㄠ〠〠ㄠ㈸㄰㐠呭ਨ(がȴ⸷〰〦MM⸶‶㔰⸱㄀ᔀȠ〠ㄠ㈲㠮㈶㠠㘳㌰7�‰‱′㈸㌶‶㔰⸱㌴⁔洊⠀ⴀ堇ሊㄠ〠〠ㄠㄵ㌮㘠㘴ㄮ㘶㐠呭ਨ4⥔樊ㄷሊㄠ〠〠ㄠㄱ⸶㘴⁔洊⠀ᔀܒ਱‰‰‱‱ㄮ㘶0:24.222:⥔樊ㄠ〠〠ㄠ㈳〮㐠㘴ㄮ㘶㐠呭ਨ/$ሊㄠ〠〠ㄠㄱ⸶/INFO:⥔樊ㄠ〠〠ㄠㄲ㤮㘠㘳㌮ㄸ㐠呭ਨJ숰〰ܒ਱‰‰‱‱〠ㄠ㈴㐮㠠唰〰఩呪਱‰坌fy_d㘷⸱〴⁔洊⠀估〇ሊㄠ〠〠ㄠㄱ⸶㌴⁔洊⠀ⴀ堀㜮㝪਱‰‰‱‱㔳⸶‶㔰⸱㐴⁔洊⠀ᜩ呪਱〷⸷樊ㄠ〠〠ㄠㄱ⸶㘴⁔洊⠀ᔀܮ㝪਱‰‰‱‱ㄮ㘶0:24.222:⥔樊ㄠ〠〠ㄠ㈳〮㐠㘴ㄮ㘶㐠呭ਨ/$⸷樊ㄠ〠〠ㄠㄱ⸶/INFO:cmm_nL〰䐀伀༩呪O:Ġ㄰‱′㐴⸸⁕〱22∴⁔洊⠀ᔀ⁔洊⡀ሀܮ㝪਱‰㘰〰伀ࠠㄠ㈴㐮㠰〰か〩O�ሀܮ㝪਱‰⁆A〰㈀L〰䠀匀✠ㄱ⸶㌴⁔洊⠀ⴅ㤰　儩呪਱‰‰‱‱㔳⸶‶㐱⸶㘴⁔洊⠀Թ〰n⥔樊ㄠ〠〠ㄠㄱ⸶㘴⁔洊⠀Թ〰n⥔樊ㄠ〠〠ㄠㄱ⸶㘀ጀᴀᔀᜀᄀᔀᔀᔀᴩ呪਱‰‰‱′㌰⸴‶㐱⸶㘴⁔洊⠀Թ〰n⥔樊ㄠ〠〠　　ሀⰀ㄀⤀㈀ᴀ䘀倀倀䈀儀唰〰伀ࠠㄠ㐀ᴩ䈰䠀嘩呪਱‰‰‱‴〳⸲〰唀倀䐀圀坌fy_d㘷⸱〴⁔洊⠀ⴅ㤰⸷㠰け⥔樊ㄠ〠〠ㄠㄵ㌮㘠㘴ㄮ㘶㐠呭ਨ"㤰⸷㠰け⥔樊ㄠ〠〠ㄠㄱ⸶㘴⁔洊⠀Թ〮㜸〰儩呪਱‰‰‱‱ㄮ㘶0:24.222:⥔樊ㄠ〠〠ㄠ㈳〮㐠㘴ㄮ㘶㐠呭ਨ"㤰⸷㠰け⥔樊ㄠ〠〠ㄠㄱ⸶/INFO:⥔樊ㄠ〠〠ㄠㄲ㤮㘠㘳㌮ㄸ㐠呭ਨJԹ〮㜸〰儩呪਱‰‰‱‱〠ㄠ㈴㐮㠠唰〰఩呪਱‰坌fy_d㘷⸱〴⁔洊⠀㔹〮㜸〰儩呪਱‰‰〠ㄠ㌳㘠㘱A〰㈱‰‰㌵27Њㄠ〠〠ㄠㄱ⸶㘴⁔洊⠀ⵀ〳〰け⥔樊ㄠ〠〠ㄠㄵ㌮㘠㘴ㄮ㘶㐠呭ਨE〰㌰〰儩呪਱‰‰‱‱ㄮ㘶㐠呭ਨE〰㌰〰儩呪਱‰‰‱‱ㄮ㘶0:24.222:
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001902: .Jul 21 18:17:22.711: ephone_capf_send_delete_cert_req_msg: SEP000E325C9A43
001903: .Jul 21 18:17:22.711: ephone_capf_ssl_write: 8 bytes
001904: .Jul 21 18:17:23.891: ephone_capf_ssl_read: Read 12 bytes
001905: .Jul 21 18:17:23.891: ephone_capf_handle_phone_msg: msgtype 14
001906: .Jul 21 18:17:23.891: certificate delete successful for SEP000E325C9A43
001907: .Jul 21 18:17:24.695: ephone_capf_release_session: SEP000E325C9A43
001908: .Jul 21 18:17:24.695: ephone_capf_send_end_session_msg: SEP000E325C9A43
001909: .Jul 21 18:17:24.695: ephone_capf_ssl_write: 12 bytes
001910: .Jul 21 18:17:25.095: %IPPHONE-6-REG_ALARM: 22: Name=SEP000E325C9A43 Load=7.2(2.0)
Last=Rese

t-Reset
001911: .Jul 21 18:17:25.099: %IPPHONE-6-REGISTER: ephone-1:SEP000E325C9A43 IP:10.10.10.194
Socket:2 De

viceType:Phone has



debug cch323 video
To





debug credentials
To set debugging on



Examples The following is sample output showing the credentials service that runs between the Cisco





debug cti
To enable debugging on the CTI interface in Cisco Unified CME, use the GHEXJ FWL command in privileged
EXEC mode. To disable debugging, use the QR form of this command.

GHEXJ FWL {DOO_ FDOOFRQWURO_ FRUH_ GPJU_ OP_ SURWRLI_





debug ctl-client
To collect debug information about the CTL client, use the GHEXJ FWO�FOLHQW command in privileged EXEC
configuration mode. To disable collection of debug information, use the QR form of this command.

GHEXJ FWO�FOLHQW

QR GHEXJ FWO�FOLHQW

Syntax Description This command has no arguments or keywords.

Command Default Collection of CTL client debug information is disabled.

Command Modes



debug ephone alarm
To





debug ephone blf
To display debugging



*Sep 4 07:18:28.951: ephone-2[2]:line status 1, subID [23]
*Sep 4 07:18:28.951: ephone-2[2]:StationFeatureStatV2Message sent, status 1

Related Commands





*May 1



debug ephone detail
To set detail debugging for the Cisco IP phone, use the GHEXJ HSKRQH GHWDLO command in privileged EXEC
mode. To disable debugging output, use the QR form of this command.

GHEXJ

GHEDLO

QRnebug

QSKRQH QHEDLO



debugging is



.
1d04h: Skinny Call State change for DN 1 CONNECTED
.
.
1d04h: ephone-1[1]:OpenReceive DN 1 codec



DescriptionCommand

Displays information about



debug ephone error



debugging is enabled for a



debug ephone extension-assigner
To display status messages produced by the extension assigner application, use the GHEXJ HSKRQH
H[WHQVLRQ�DVVLJQHU



(26); CV_VOICE_EFXS (26)



debug ephone hfs
To collect and display debugging information on the download of IP phone configuration and firmware files
using the HTTP File-Fetch Server ,



Table 2: debug ephone hfs Field Descriptions



debug ephone keepalive
To set keepalive debugging for the Cisco IP phone,





debug ephone loopback



Examples The following example contains two excerpts of output for a call that is routed through a loopback. The first
excerpt is output from the VKRZ UXQQLQJ�FRQILJ command and displays the loopback configuration used for
this example. The second excerpt is output from the GHEXJ



When extension 1514 answers the call, the following debug output is displayed:

.

.

.
Mar 7 00:57:32.158:SkinnyDnToneLoopback DN 42





DescriptionField

Disconnect cause code, in decimal. These are normal
CC_CAUSE code values that are also used in call
control API







debug ephone message
To enable message tracing between ephones, use the GHEXJ HSKRQH PHVVDJH command in privileged EXEC
mode. To disable debugging output, use the QR



Related Commands



debug ephone mlpp
To display debugging information for Multilevel Precedence



Sep 5 14:23:02.303: ephone-4[3/3][SEP001AE2BC3EE7]:indication=1
Sep 5 14:23:02.303: ephone-4[3/3][SEP001AE2BC3EE7]:mlpp









debug ephone mwi



Related Commands



debug ephone paging
To collect debugging information on paging for both Cisco Unified SIP



Related Commands



debug ephone pak
To provide voice packet level debugging and





DescriptionCommand





received by all (shared) phones 0
Mar 7䐀唀









debug ephone register
To set registration debugging for the Cisco IP IP

osebugg= re



debugging is enabled for a Cisco IP phone, the debug output is displayed for the directory numbers associated

hefo wing phK a





Related Commands



debug ephone shared-line-mixed
To





D e s c r i p t i o nC o m m a n d

� $ � G � G � V



debug ephone state
To set state debugging for the



debugging is enabled for a Cisco IP phone, the debug output is displayed for the directory numbers associated
with the Cisco IP phone.

Examples The following is sample output of state debugging for the Cisco IP phone withMAC address 0030.94c3.E1A8:

Router# GHEXJ HSKRQH VWDWH PDF�DGGUHVV �������F��(�$�
EPHONE state debugging is enabled for phone 0030.94C3.E1A8
1d06h: ephone-1[1]:OFFHOOK
1d06h: ephone-1[1]:SIEZE on activeline 0
1d06h: ephone-1[1]:Se〰㸀Ȁ䠀匀㕈phopoM쀾�emਨephonM〗CM᐀ne⥔樊ㄠ〠〲㜀☀。✀⬀儀䠀R洮㌸⁔浔䠀



DescriptionCommand

Displays information about



debug ephone statistics
T



You can enable or disable debugging on any number of Cisco IP phones. To see the Cisco IP phones that
have debugging enabled,





*Mar 13 16:10:04.967:





Table 6: debug ephone vm-integration Field Descriptions





Active Callਰ⁔挊〠䜊〠〰え



debug mwi relay errors





debug mwi relay events
To set



Related Commands







for dn '20141'
.Aug



debug voice register errors
To display debug information on voice register module errors during registration in a CiscoUnified CallManager
Express (Cisco Unified CME) or Cisco Unified



Examples The following is sample output from this command:

Router# GHEXJ YRLFH UHJLVWHU HUURUV
*Apr 22 11:52:54.523



debug voice register events
To display debug information on voice register module events during Session Initiation Protocol (SIP) phone
registrations in a Cisco Unified CallManager Express (Cisco Unified CME) or Cisco Unified SIP Survivable
Remote Site Telephony (SRST) environment, use the GHEXJ YRLFH UHJLVWHU



The phone number 4901 associated with voice register pool 1, voice register dn 1, registered successfully. A
dynamic normal (type 0) VoIP dial peer

ph pb ed

pf pe e¨ 0 e dial peer pc pb pv f d pu og pt onw pgister N od onw ps eF u ps N pr pc al pC N pU i i pḿP pḿᴳḿὕ Tf Ti i N oᴗ - pi ly iO





Related Commands





Related Commands DescriptionCommand

Defines a hunt group for SIP phones



description (ephone)
To provide ephone descriptions for network management systems using an eXtensible Markup Language
(XML) query, use the GHVFULSWLRQ command in ephone configuration



description (ephone-dn and ephone-dn-template)
To display a custom text-string description in the header bar of all supported Cisco Unified IP



ವ Cisco Unified IP Phones 7960 and 7960G

ವ Cisco Unified IP Phone 7970

ವ Cisco Unified IP Pone 7971

For Cisco Unified IP Phone 7940s and 7940Gs



description (ephone-hunt)
To create a label for an ephone hunt group, use the GHVFULSWLRQ command in ephone-hunt configur



description (voice hunt-group)
To specify a description for a voice hunt group, use the GHVFULSWLRQ command in voice hunt-group configuration
mode. T



description (voice moh-group)
To display a brief description specific



DescriptionCommandCommand
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device-name
To assign



device-security-mode
To set the security mode for SCCP signaling for devices communicating with the Cisco Unified CME router
globally or per ephone, use the GHYLFH�VHFXULW\�PRGH command in telephony-service or ephone configuration
mode. To return to the default, use the QR form of this command.

GHYLFH�VHFXULW\�PRGH {DXWKHQWLFDWHG_ QRQH_ HQFU\SWHG}

QR 0䰀圀尀က倀刀䜀䠀

{





device-type
To specify the phone type, use the GHYLFH�W\SH command in ephone-type configuration mode. To reset to the





DescriptionCommand

Assigns the phone type to a SCCP phone.W\SH

   Cisco Unified Communications Manager Express Command Reference



dial-peer no-match isdn disconnect-cause
To disconnect the incoming ISDN call when no inbound



dialplan
To assign a dial plan to a SIP phone, use the GLDOSODQ command in voice



Examples



dialplan-pattern



Command Modes Telephony-service configuration

Command History



routers have authorities such as gatekeepers that route calls through the network. These authorities require
E.164 numbers so that all numbers in the network will be unique. Use the GLDOSODQ�SDWWHUQ command to
expand extension numbers into unique E.164 numbers for registering with a gatekeeper.

Ephone-dn numbers for the Cisco IP phones must match the number in the H[WHQVLRQ�OHQJWK argument;
otherwise, the extension number cannot be expanded. For example, the following command maps all 3-digit
extension numbers to the telephone number 40855501xx, so





dialplan-pattern (call-manager-fallback)
To create a global prefix that can be



Command Default No



For inbound calls (calls to an IP



����



dialplan-pattern (voice register)
To define a pattern that is used to expand extension numbers in Cisco Unified CME into fully



Command Default





digit collect kpml
To enable Key Press Markup Language (KPML) digit collection on a SIP phone,





direct-inward-dial isdn
To enable incoming ISDN enbloc dialing calls, use



dial-peer voice 1 voip
destination-pattern 5511...
session protocol sipv2
session target ipv4:1.3.45.1
incoming called-number 5522...
direct-inward-dial
...

!

Related Commands DescriptionCommand

Enters voice service configuration mode.YRLFH





Related Commands



directory entry



Usage Guidelines







dnd feature-ring
To disable ringing



Router(config-ephone)# QXPEHU ����
Router(config-ephone)# SUHIHUHQFH �
Router(config-ephone)# QR KXQWVWRS

Router(config)#





dn-webedit
To enable the adding of extensions (ephone-dns) through the Cisco Unified CME
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Cisco Unified CME Commands: D
dn-webedit



dst (voice register global)
T



Usage Guidelines This command sets the stop and start times for daylight saving time if theYLQJ







dtmf-relay (voice register pool)
To specify the list of DTMF relay methods that can be used to relay dual-tone





Examples The following is sample output from the VKRZ UXQQLQJ�FRQILJrung eд㈮㘰㡋RZ✰⸰〰嘀





ವH[WHQVLRQ�UDQJH�SDJH���ವH[WHUQDO�ULQJ�YRLFHUHJLVWHUJOREDO��SDJH



elin
To create a PSTN



Examples In the following example, all IP phones with the IP address of 10.X.X.X or 192.168.X.X are automatically
associated with this ERL. If one of the phones dials 911, its extension is replaced with 408 555-0100 before
it goes to the PSAP. The PSAP will see that

T e
e Ŭ

�7561

�,�Q28�80 1 211.2Y0 0 1 158�\�W�Q28�80 1 211.2H000WP000UH 129.6 65J000R�Q



elin (voice emergency response settings)
To create a default ELIN that is used if



Related Commands



em external
To remove the login page under the Extension Mobility option from the Services menu on IP phones in Cisco
Unified CMED CthetL ElL frra be phy ra



Related Commands



em keep-history
To disable Automatic Clear Call History for Extension Mobility phones in Cisco Unified CME, use the



em logout
To configure up to three time-of-day based timers for automatically





emadmin login
To



�
Router#



emadmin logout
To manually log out an external application from





Related Commands



emergency response location
To associate an emergency response location (ERL) for Enhanced 911 Services with a dial peer, ephone,la e,l,la e,la e,l,la ŵ



ವ Voice register pool

ವ Voice register template



emergency response zone
To



This command can be defined in multiple dial peers. The zone tag option allows only ERLs defined in that
zone to be routed on this dial peer. Also, this



ephone
To enter Ethernet phone (ephone) configuration mode for an IP phone for the purposes of creating and
configuring an ephone, use the HSKRQH command in global configuration mode. To disable the





ephone-dn
T



Before using the





ephone-dn-template



no Negate a command or set its defaults



ephone-dn-template (ephone-dn)
To apply an ephone-dn template to an ephone-dn, use the HSKRQH�GQ�WHPSODWH command in ephone-dn
configuration mode. To remove the ephone-dn template, use the QR form of this command.

HSKRQH�GQ�WHPSODWH WHPSODWH�WDJ

QR HSKRQH�GQ�WHPSODWH WHPSODWH�WDJ





ephone-hunt
To enter ephone-hunt configuration mode for the purposes of creating and configurM









ephone-hunt login
To authorize an ephone-dn to dynamically join and leave an ephone hunt group, use the HSKRQH�KXQW ORJLQ
command in ephone-dn configuration mode. To disable this capability





ephone-hunt statistics write-all
Effective with Cisco Unified CME 9.0, the HSKRQH�KXQW VWDWLVWLFV ZULWH�DOO command is replaced by the
KXQW JURXS VWDWLVWLFV ZULWH�DOO command in privileged EXEC mode. For more information, see the KXQW
JURXS VWDWLVWLFV ZULWH�DOO command.

To write ephone-hunt statistics



Examples The following example writes the ephone hunt group statistics to a file in flash called ಯhuntstats.ರ See the
KXQW�JURXS UHSRUW XUO command for explanations of the output fields.

Router# HSKRQH�KXQW VWDWLVWLFV ZULWH�DOO IODVK�KXQWVWDWV

Writing out all ephone hunt statistics to tftp now.
11:13:58 UTC Fri Apr 29 2005,
,
01, Fri 11:00 - 12:00, HuntGp, 01, 01, 00000, 00000, 00000, 0000, 0000, 000000, 000000,
0000, 00000, 000000, 000000,
01, Fri 12:00 - 13:00,Hu000�呪਱‰‰‱′㤲⸸‵㤷⸳㠹–00�呪਱‰‰‱′㤲⸸‵㤷⸳〰〕:0,

00�䐀ᠴ〰༰〰�00M〓0�00M〓0�00�䐀〓00�







The following example creates an ephone template to block the use of Park and Trnsfer soft



ephone-template (ephone)
To



After applying an ephone template, use the UHVWDUW command to perform a fast reboot of the





ephone-type
To add a Cisco



num-buttons 1
max-presentation 1
no





The following example shows call-history as excluded from ephone 10:

!
telephony-service
max-ephones 40
max-dn



exclude (voice register)
To exclude from the Cisco Unified SIP IP phoneಬs user interface the availability of local services such as
Extension Mobility (EM), My Phone Apps, and Local Directory, use the H[FOXGH command in voice register
pool or voice register template configuration mode.

H[FOXGH [HP_ P\SKRQHDSSV_ GLUHFWRU\]

Syntax Description



expiry
To set the time after which emergency callback history expires, use the H[SLU\





extension-assigner tag-type
To enable provision tags for identifying ephone configurations when using





extension-range
To define a





external-ring (voice register global)
To specify the type of ring



   Cisco Unified Communications Manager Express Command Reference



Cisco Unified CME Commands: F

ವ fac, page 486

ವ fac refer, page 493

ವ





(Optional) Additional digits that are automatically
dialed when the phone user dials the custom FAC
being c C C



IHDWXUH

   Cisco Unified Communications Manager Express Command Reference
488



Predefined



�W�U�Q�V�I�Y�P

�§





The following example shows how to create three aliases for the Group Pickup feature. The F



fac refer
To send the SIP REFER to a SIP phone. use the IDF UHIHU command in voice register global configuration
mode. To allow Cisco Unified



fail-connect-time
To specify the maximum time to wait for establishing VPN tunnel including establishing of SSL/DTLS



=䜊〠朊䉔ਯ䘶‸⁔昊ㄠ〠〠ㄠㄴ㠮㠠㜰ㄮ〲㐠呭琷〱⸰㈴⁔浴㜰ㄮ〲㐠呭琷〱⸰㈴⁔浴㜰ㄮ〲㐠呭挀



fastdial
To create an entry for a personal speed-dial number, use the IDVWGLDO FRPPDQG LQ ephone or ephone-template
configuration mode. To delete a personal speed-dial number, use the QR form of this command.

IDVWGLDO GLDO�WDJ QXPEHU QDPH QDPH�VWULQJ

QR IDVWGLDO GLDO�WDJ

Syntax Description



Usage Guidelines This command

http://www.cisco.com/en/US/products/hw/phones/ps379/products_user_guide_list.html
http://www.cisco.com/en/US/products/hw/phones/ps379/products_user_guide_list.html


feature-button
To enable feature button configuration on a line key, use the feature-button command in ephone,
ephone-template, voice user profile, or voice logout profile configuration mode. To disable the



for DnD, the SULYDF\�EXWWRQ command will be ignored and the privacy button must be configured through
the feature-button command to take effect.

In Cisco Unified CME 8.5 and later versions, the feature-button command allows you to



feature-button (voice_register_pool)
To configure feature button configuration on a





features blocked
To prevent one or more features from being used on a





feed
To enable an audio stream for multicast from a external live audio feed connected directly to the router by a
foreign exchange office (FXO) or an E&Manalog voice port, use the IHHG commanM



Usage Guidelines When this command is used, a connection for a live feed audio stream is established as an automatically
connected voice call. If the RXW�FDOO keyword is used, the Cisco CME system calls out to the specified number
for the audio stream. If the RXW�FDOO keyword is not used, it is assumed that the call





file text (voice register global)
To generate ASCII text



filename
To specify a custom XML file that contains the dial patterns to use for a SIP dial plan, use the ILOHQDPH
command K ommr e omm¨



Examples The following example shows that a custom file named sample.xml is specified for dial plan 2.

Router(config)# YRLFH UHJLVWHU



final
To define





final (voice hunt-group)





forward local-calls





forward local-calls (voice hunt-group)
To allow local calls to be forwarded, use the IRUZDUG ORFDO�FDOOV command in voice hunt-group configuration
mode. To prevent local calls from being forwarded, use the QR form of this command.

IRUZDUG ORFDO�FDOOV WR�ILQDO

QR �



Examples The following example shows how to prevent the forwarding of local calls to the final destination in parallel
voice hunt group 1:

Router# configure terminal
Router(config)# voice hunt-group 1 parallel
Router(config-voice-hunt-group)# QR IRUZDUG ORFDO�FDOOV WR�ILQDO

Related Commands



forwarding local (voice register global)
To use the forwarding-party number and name (the local



from-ring
To specify that on-hook time stamps for ephone



Related Commands







fxo hook-flash
To enable display of a flash soft key on a Cisco IP Phones 7940 and 7940G or Cisco IP Phones 7960 and
7960G



Related Commands





gsm-support
To



group (lpcor custom)
To add a logical partitioning class of restriction (LPCOR) resource group to the custom resource list, use the
JURXS



Related Commands



group (telephony-service)
To create a (VRF) group for CiscoUnified CME users and phones, use the JURXS command in telephony-service
configuration mode. To remove a group, use the QR form of this command.

JURXS JURXS�WDJ [YUI YUIQDPH]

QR JURXS

Syntax Description Unique identifier for VRF group being configured.
Range 1 to 5

JURXS�WDJ

(Optional) Name of already-configuredVRF towhich
this VRF group is associated.

YUI YUIQDPH

Command Default No group is configured.

Command Modes Telephony-service configuration (config-telephony)

Command History ModificationRelease

This command was introduced.12.4(22)T

Usage Guidelines By default, VRF groups are associated with a global voice VRF unless you use the YUI YUIQDPH





group phone
T





group (voice register global)
To add a phone or a softphone on a



source-address 9.0.0.1

group 3 vrf voice-vrf1
source-address 10.0.0.1

Related Commands



group (voice register pool)
To configure multiple virtual routing and forwarding (VRF) groups for SIP phones and soft phones on PC or
mobile, use the JU



Related Commands



Cisco Unified CME Commands: H

ವ headset



headset auto-answer line



headset auto-answer line 1
headset auto-answer line 4

The following example shows how to



hfs enable
To enable





hfs home-path
To set up a home-path for IP phone firmware files, use the KIV KRPH�SDWK command in telephony-service
configuration mode. T



8 0 Jan 5 2011 02:03:46 +00:00 phone-loads
14819328 bytes available (49192960 bytes used)
cassini-c2801�ਠ㘸㐮〶㐠㐮〶㐠㐮〶㐠〓





hold-alert
To set







hold-alert (voice register global)
To enable a one-time audible alert notification for a call





hops
To define the number of times that a call can proceed to the next ephone-dn in a peer or longest-idle ephone
hunt





hops (voice hunt-group)
To define the number of times that a



DescriptionCommand

Sets the number











0000,



D e s c r i p t i o nC o m m a n d � : � U � L � W � H � V � D � O � O



hunt-group logout
To set the hunt-group logout options, use the KXQW�JURXSORJRXW



ModificationCisco ProductCisco IOS Release

The QRWLI\ and WKUHVKROG keywords were
added.

Cisco Unified CME 9.115.2(2)T2

Usage Guidelines





hunt-group report delay hours
To delay the automatic transfer of Cisco CallManager Express (Cisco CME) basic automatic call distribution
(B-ACD) call

E o O

�G�H�O�D�\�280005�V�W�R�PO�0�D�GTm
(ÑR�R6.374 TRm
(�G0 0 10 0 039.Q3 1 201.14 Tm
(�J00D�Q�D�J�000R�Q)Tj176. 6710 0 039.Q3 1 203delay hours)Tj
V55.2600R�Q)Tj0 0 T
/10 0 039.Q3 1 200000R�Q

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/cme40tcl.html




http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/cme40tcl.html


The following is an example of a report that the previous configuration might send to a file if the VWDWLVWLFV
FROOHFW command was entered at 18:20:

22:00:00 UTC Tue Dec 20 2005,



hunt-group statistics write-all
To write all the ephone and voice hunt group statistics to



,
EPHONE HUNT GROUP STAT,
01, Sat 00:00 - 01:00, HuntGp, 02, 02, 00001, 00001, 00000, 0007, 0007, 000001, 000001,
0000, 00000, 000000, 000000,
01, Sat 00:00 - 01:00, Agent, 5012, 00001, 000001, 000001, 00000, 000000, 000000, 00001,
000008, 000008, 00001, 000003, 000003,
01, Sat 00:00 - 01:00, Queue, 00000, 00001, 00000, 00006, 00006, 00000, 00000, 00000, 00000,
00000,

01, Sat 01:00 - 02:00, HuntGp, 00, 00, 00000, 00000, 00000, 0000, 0000, 000000, 000000,
0000, 00000, 000000,

000000, -













huntstop (voice register dn)
To disable



Examples The following example shows a typical configuration in which huntstop is required. The KXQWVWRS command
is enabled and prevents calls to extension 5001 from being rerouted to the on-net H.323 dial peer for 5... when
extension 5001 is busy (three periods are used as wild cards).

voice register e㐠㘵ㄮ㐹㈠㐴‶㈸਱‰‰‱‴㠹⸹㈵‶㘳⸴㤲⁔洊⠀䜀‰‰‱′㘸਱‰‰‱‴㐸〰さㄊ⠸d=〠儰〰䜩呪਱倰〰儀䨩呪਱唷㤠㘵ㄮ㐹㈠呭ਲ⸴㤲ㄊ⠸d=〠ጀᐩ呪਱‰‰‱′〷⸲㤠㘵ㄮ㐹㈠吴㐸〰さㄊ⠀ntstop⥔樊ㄠ〠〠ㄠ㐳ㄮ㠲‶㜵⸵㜳⁔‶㐲⸹㐮㔴iceK㤴⸵㐀䰀䘀嘀圀䠀唀K㤴⸵㐀䰀䙓〰え



Related Commands DescriptionCommand

Disables all further dial-peer hunting if a call fails on
the dial peer.

KXQWVWRS �GLDO�SHHU�

Creates a



Cisco Unified CME Commands: I

ವ ica,



ica
To specify the



Related Commands



id (voice register pool)
To explicitly identify a locally available individual Cisco SIP IP phone, or when running Cisco

IPuo al IP du ava SmPuK P P e, r fr CisR ҇ P





Related Commands





Related Commands



index (lpcor ip-phone)
To add a logical partitioning class of restriction (LPCOR) group to



Two IP-phone subnet



index (lpcor ip-trunk)
To add a logical partitioning





intercom (ephone-dn)



ModificationCisco ProductCisco IOS Release

The paging number and ptt keywords and
argument was added.

Cisco Unified CME 7.012.4(20)T

Usage Guidelines This command is used to dedicate a pair of Cisco ephone-dns

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/admin/configuration/guide/cmelabel.html
http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/admin/configuration/guide/cmelabel.html


button 1:2 2:4 3:18
ephone 5
button 1:3 2:6 3:19
In the example, ephone-dn 18 and ephone-dn 19 are set as an intercom pair. Ephone-dn 18 is associated with
button 3 of Cisco IP phone (ephone) 4, and ephone-dn 19







internal-call
T



Related Commands



ip address trusted authenticate
To enable ip address trusted authentication for incoming VoIP (H.323/SIP)









ip address trusted list
To manually add multiple IP addresses for incoming VoIP (H.323/SIP) calls, use the LS DGGUHVV WUXVWHG OLVW
command in voice service voip mode. To turn off the list, use the no form of this command.

LS DGGUHVV WUXVWHG OLVW LSY� LSY� DGGUHVV QHWZRUN PDVN

QR LS DGGUHVV WUXVWHGOLVWL

S

Y

�

L

S

Y

�

HVVQHWZRUNPD 䜊〰一

�L�S�Y�V�H�D�G�G�U�H�Q�R�R�I�F�D�O�O�G�500V





ip qos dscp (telephony-service and voice register global)
T



� 6 � H � W � V� ' � 6 � & � 3



telephony-service
load 7960-7940 P00308000500
max-ephones 100
max-dn 240
ip source-address 10.7.0.1 port 2000
ip qos dscp af11 media
ip qos dscp cs2 signal
ip qos dscp af43 video
ip qos dscp



ip source-address (credentials)
To



Examples

Examples The following example





Command Default The IP address for



Use the VWULFW�PDWFK keyword to instruct the router to reject



Related Commands DescriptionCommand

Configures DHCP server options.RSWLRQ

Configures a preferred IP-address mode for SCCP IP
phones in





keepalive (ephone and ephone-template)
To set the





keepalive (telephony-service)
To set the length



keepalive (voice register global)
To set the length of time interval between successive keepalive messages from SIP phones tothe



keepalive (voice register session-server)
To define the duration for registrations of



Related Commands









ModificationCisco Product



to terminate the conference and disconnect all parties or can press the EndCall soft key to leave the conference
and keep the other two parties connected.

ephone-dn 36



keep-conference (voice register)
To allow IP phone conference initiators to exit from conference calls and keep the remaining parties connected,
use the NHHS�FRQIHUHQFH command in voice register pool configuration mode or voice register template
configuration mode. To

voicecalls



The following example shows how to configure this command under voice register template configuration
mode.

Router(config)# YRLFH UHJLVWHU WHPSODWH �
Router(config-register-template)# NHHS�FRQIHUHQFH

Related Commands



keygen-retry
To



Related Commands DescriptionCommand

Specifies the

�W�UH�V



keypad-normalize
To impose a 200-millisecond delay before each keypadmessage from an IP phone, use the NH\SDG�QRUPDOL]H
command in ephone or ephone-template configuration mode. To return to the default, use the QR form of this
command.

NH\SDG�QRUPDOL]H

QR NH\SDG�QRUPDOL]H

Syntax Description This command has no keywords or arguments.

Command Default Keypad messages are handled as fast as the system can handle them, without an



keyphone
To designate a







Cisco Unified CME Commands: L

ವ label, page 632

ವ label (voice register dn), page 634

ವ list (ephone-hunt), page 636

ವ list (voice hunt-group), page 639

ವ live-record, page 641

ವ load (telephony-service), page 643

ವ load (voice register global), page 650

ವ load-cfg-file, page 655

ವ loc l aᴘ oice l

ವ







label (voice register dn)
To create a text identifier instead of a phone-number display for an extension on a SIP phone console, use the
ODEHO FRPPDQG LQ voice





list (ephone-hunt)
To create a list of



Usage Guidelines Use this command to create a





list (voice hunt-group)
To define a



Examples The following



live-record
To define the



DescriptionCommand

Modifies the order and type of soft keys that display
on an IP phone during the connected call state.

VRIWNH\V FRQQHFWHG

Defines the telephone number that is speed-dialed
when the Messages button is pressed on an IP phone.

YRLFHPDLO
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load (telephony-service)
To associate a type of Cisco Unified IP phone with a phone firmware file, use











If applicable, Cisco Unified IP phones update themselves with new phone firmware whenever they are started
up or rebooted.

A separate ORDG command is needed for each type of phone. The Cisco Unified IP Phones 7940 and 7940G
and the Cisco









T



';���ಧCisco DX650.ವ

Filename for the Cisco Unified IP phone firmware to
be associated with the IP phone type. Do not use the
.bin or .load file extension, except for the Cisco
Unifiedphone Ɉ 56



A separate ORDG command



load-cfg-file
To load configuration files on the TFTP server and to sign configuration files that are not created



Examples The following example creates a file called ringlist.xml.sgn in



loc2
To specify the audio file used for the loss of C2 features





location (voice emergency response zone)
To include a location within an emergency response zone, use the ORFDWLRQ command in voice emergency
response zone mode. To assign specific priorites to the locations, use the priority tag. To remove the location,
use the QR form of this command.

fM tion

O t< s s > ] us on

f



voice emergency response zone 11
location 5 priority 1
location 3 priority 2
location 4 priority 3
location 2 priority 10



log password
Effective with Cisco Unified CME 4.0, the ORJ SDVVZRUG command was replaced by the [PO XVHU





log table
To set parameters for the table used to capture phone events used for the eXtensibleMarkup Language (XML)
Application Programming Interface (API), use the ORJ WDEOH command in telephony-service configuration
mode. To reset parameters to their default values, use the QR form of this command.

ORJ WDEOH





logging (voice emergency response settings)
To enable sylog messages to



Related Commands



login (telephony-service)
To define the timer for automatically deactivating user login on SCCP phones in a Cis au ne Cis use



The ORJLQ



logo (voice register global)
To specify a file to display on SIP phones, use the ORJR command in voice register global configuration mode.
To disable the display o ḓᴙ



logout-profile
T



Before using this command, you must create a logout profile to be applied to this phone by using the YRLFH
ORJRXW�OILOH

ORPPDQG�



loopback-dn
To create a









caller-id local
no huntstop

Related Commands



lpcor incoming
To associate an incoming call with a logical partitioning class of restriction (LPCOR) resource-group policy,
use the OSFRU LQFRPLQJ command in ephone, ephone-template, trunk



This command is





lpcor outgoing
To associate an outgoing call with a logical partitioning class of restriction (LPCOR) resource-group policy,
use the OSFRU RXWJRLQJ command in dial peer, ephone, ephone template, trunktrunk









If



Cisco Unified CME Commands: M

ವ mac-address (ephone), page 687

ವ mac-address (voice-gateway), page 689

ವ mailbox-selection (dial-peer), page 691

ವ mailbox-selection (ephone-dn), page 693

ವ max-calls-per-button, page 695

ವ max-conferences, page 697

ವ max-dn, page



ವ mobility



mac-address (ephone)
To associate the MAC address of a Cisco IP phone with an ephone configuration in a Cisco CallManager
Express (Cisco CME) system, use thePDF�DGGUHVV command in ephone configuration mode. To disassociate
the MAC address



FQI�ILOHV, and LS VRXUFH�DGGU





DescriptionCommand

Identifies the analog ports onthV V n ᴔ on n if n iQ npoK



mailbox-selection (dial-peer)
To set a policy for selecting a mailbox for calls from a



ವWhen a call is forwarded across several SIP trunks. Multiple SIP Diversion Headers (stacking



mailbox-selection (ephone-dn)
To set a policy for selecting a mailbox for calls that are diverted before being sent to a Cisco Unity voice-mail
pilot number, use the







HSKRQH �
Router(config-ephone)# PD[�FDOOV�SHU�EXWWRQ �

Related Commands

0S�H�W�V0Q�W0S�K�H



max-conferences
To set the maximum number of three-party conferences that are supported simultaneously by the Cisco
CallManager Express (Cisco CME) router, use thePD[�FRQIHUHQFHV command in telephony-service
configuration mode. To reset this number to the default, use the QRいQGWKȠ㘳㈮㈹㌨Ԋㄠ〠〠ㄠ㌳㘮㜱㈠㐰‰‶′㘱⸷㠲‶㌲⸲㐶㈮㈹㌠呭ਨWKĠ㄰⁔昊ㄠ〠〠ㄠ㐲ㄮ㜲‶㐴⸳㜴′〰⸳㌠㘳㈮㈳㠵⸲㘲‶㌲⸲㤳⁔洰䠀Ȱ㌰え⥔樊⽆㌠㄰⁔昊ㄠ〠〠ㄠ㌴㜮㠲‶㐴⸳㜴⁔洊⠀倀䐀嬀ဃ㜴〰〰。〳〰䠩呪ਯ䘰〰唩呪਱‰‰‱″㤶⸴㠠㘴㐮㔮㈶㈠㘳㈮㈹㌠呭㈱㔮�〳〰䠀

PD[�ȶ〮㔲㤰。〳〰䠀
⠷㤰。〳〰䠩呪ਯ䙟㌲⸲㤳⁔洊⠵ܹ〰Ȱ㌰え⥔樊⽆″㐳㌲⸲㤳⁔洊⠵㤮㠷㤰。〳〰䠩呪ਯ䙟㌲⸲㤳⁔洊⠶㐮㔷㤰。〳〰䠩呪ਯ䘠㌴㘰䠀





max-dn
To

o



ModificationCisco ProductCisco IOS Release

The SUHIHUHQFH, QR�UHJ, SULPDU\, and ERWK
keywords were integrated into Cisco IOS Release
12.4(9)T.

Cisco Unified 4.012.4(9)T

Usage Guidelines ThePD[�GQ command limits the number of extensions (ephone-dns) available in a Cisco Unified CME
system. The maximum number of ephone-dns that



Description

Sets the maximum numbes m m= ὠ M m ets SP n P n n m



max-dn (voice register global)
To set themaximum number of SIP phone directory



You



max-ephones
To set



You can increase the number of



max-idle-time



Related Commands





max-pool (voice register global)
To set the



You can increase the number of phones; but after the maximum allowable number is configured, you cannot
reduce the limit of the SIP phones without rebooting the router.

This command can also be



max-presentation
To set the number of call presentation lines supported by a phone





max-redirect
To change the number of times that a call can be redirected by call forwarding or transfer within a Cisco
Unified CME system, use thePD[�UHGLUHFW command in telephony-service configuration mode. To reset to
the default number of redirects, use the QR form of this command.

PD[�UHGLUHFW QXPEHU

QR PD[�UHGLUHFW

Syntax Description Number of

�T5.90X�P�'�X�O�W





max-subscription
To set themaximumnumber of concurrent watch sessions that are





max-timeout
To set the maximum combined timeout for the no-answer periods for all ephone-dns in the ephone-hunt list,
use thePD[�WLPHRXW command in ephone-hunt configuration mode. To return this value to the default, use
the QR form of this command.

PD[�WLPHRXW VHFRQGV

QR PD[�WLPHRXW VHFRQGV

Syntax Description





media
To





The following example shows media flow-around configured for all VoIP calls:

Router(config)# YRLFH VHUYLFH YRLS
Router(config-voi-serv) PHGLD IORZ�DURXQG
The following example shows media flow-around configured for voice class calls:

Router(config)# YRLFH FODVV PHGLD �
Router(config-class) PHGLD IORZ�DURXQG





members logout
To configure a Cisco Unified CallManager Express system for



members logout (voice hunt-group)
To configure a
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Related Commands DescriptionCommand

Associates directory numbers with individual buttons
on a Cisco Unified IP Phone and specifies ring
behavior.

EXWWRQ



mlpp indication
To enable





mlpp max-precedence
To





mlpp preemption
To enable calls on an SCCP phone or analog FXS port to be preempted, use thePOSS SUHHPSWLRQ command
in ephone-template or voice-port configurationmode. To disable preemption, use the QR form of this command.

POSS SUHHPSWLRQ

QR POSS SUHHPSWLRQ

Syntax Description



Related Commands



mlpp service-domain
To set the service domain and maximum precedence (priority) level for Multilevel Precedence and Preemption
(MLPP) calls, use



To apply a template to



mobility (ephone-dn)
To enable theMobility feature on an extension of an SCCP IP phone, use thePRELOLW\ command in ephone-dn
configuration mode. To

Mobd O

fV S P le of e









Release 11.7) onwards, the QR form of this command clears all the voice register



moh (ephone-dn)
To enable music on







moh (telephony-service)
To generate an audio stream from a file for music on hold (MOH) in a Cisco CallManager Express (Cisco
CME) system, use thePRK command in telephony-service configuration mod (





moh (voice moh-group)
To enable music on



Related Commands



moh-file-buffer
To specify a MOH



transfer-system





Enables



mtp
To send voice packets from an IP phone to the





mtu (vpn-profile)
To enter the mtu value



voice register global
max-pool 10

Related Commands DescriptionCommand

Defines a VPN-profile.YSQ�SURILOH

Cisco Unified Communications Manager Express Command Reference    
755



multicast moh



Usage Guidelines This command enables





mwi (ephone-dn and ephone-dn-template)
To enable a specific



extension is a ಯdummyರ extension and is not associated with





mwi (voice register dn)
To enable



mwi expires
T



mwi prefix
To specify a prefix









mwi reg-e164
To register E.164 numbers rather than



mwi relay
To enable a Cisco CallManager Express (Cisco CME) router to relay message-waiting indication (MWI)
notification to remote Cisco



mwi sip
To subscribe an extension in a Cisco Unified CME system to receive message-waiting indication (MWI) from
a SIP-basedMWI server, use thePZL VLS command in ephone-dn or ephone-dn-template configuration mode.
To remove the configuration, use the QR form of this command.

PZL VLS

QR PZL VLS

Syntax Description This command has no arguments



Router(config-ephone-dn)QXPEHU����Router(config-ephone-dn)QDPH0:,Router(config-ephone-dn)PZLVLSRouter(config)WHOHSKRQ\�VHUYLFHRouter(config-telephony)PZLVLS�VHUYHU����������剥污瑥搠䍯浭慮摳







mwi sip-server 172.16.14.22 unsolicited prefix 555

Related Commands





mwi-line
T





Related Commands



mwi-type
To



ವ If the phone supports (visual) MWI only, Message W
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mwi-type
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ವ number (voice register dn), page 838

ವ number (voice register pool), page 840

ವ number (voice user-profile and voice logout-profile), page 843

ವ num-buttons, page 847

ವ



name (ephone-dn)
T



Examples



name (ephone-hunt)
To associate a



The following example



name (voice emergency response location)
To describe or identify an emergency response location, use the QDPH command in voice emergency response
location mode. To remove this definition, use the QR form of this command.

QDPH VWULQJ

QR QDPH

Syntax Description String (30o





name (voice hunt-group)
To associate a name with a called voice hunt group, use the QDPH commandM



The following example associates a one-word name for the primary pilot number and a two-word name for
the secondary pilot number:

QDPH ),1$1&( VHFRQGDU\ ಯ,17(51$/ $&&2817,1*ರ
The



name (voice register dn)
To associate a name with a directory number in Cisco Unified CME, use the QDPH command in voice register
dn configuration mode. To disassociate a name from an extension, use the QR form of this command.

QDPH QDPH

QR



Related Commands



network-locale (ephone-template)
To



ephone-template 1
user-locale 1
network-locale 1

ephone-template 2
user-locale 2
network-locale 2

ephone-template 3
user-locale 3
network-locale 3

ephone 11



network-locale (telephony-service)
To select a code for a geographically specific set of tones and cadences on supported phone types, use the
QHWZRUN�ORFDOH command in telephony-service configuration mode. To disable selection of a code, use the
QR form of this command.

QHWZRUN�ORFDOH [QHWZRUN�ORFDOH�WDJ >XVHU�GHILQHG�FRGH@] ORFDOH�FRGH

QR QHWZRUN�ORFDOH QHWZRUN�ORFDOH�WDJ

Syntax Description



Locale files for the following ISO 3166 codes are
predefined in system storage for supported phone
types:

ವ $7ಧAustria

ವ &$ಧCanada

ವ &+



M o d i f i c a t i o nC i s c o  P r o d u c tC i s c o  I O S  R e l e a s e � 7 � K � H � Q � H � W � Z � R � U � N � � � O � R � F � D � O � H � � � W � D � J � D � Q � G � X � V � H � U � � � G � H � I � L � Q � H � G � � � F � R � G � H

� D � U� J � X � P � H � Q � W � V� Z � H � U � H� D � G � G � H � G � � � & � L � V � F � R � 8 � Q � L � I � L � H � G � & � 0 � ( � � � � � � � � � � � � � � � � � � � � � ; � &

� 7 � K � H� Q � H � W � Z � R � U � N � � � O � R � F � D � O � H � � � W � D � J � D � Q � G� X � V � H � U � � � G � H � I � L � Q � H � G � � � F � R � G � H

� D � U� J � X � P � H � Q � W � V� Z � H � U � H� L � Q � W � H � J � U � D � W � H � G� L � Q � W � R� & � L � V � F � R � , � 2 � 6� 5 � H � O � H � D � V � H

� � � � � � � � � � � � � � � 7

� �

� & � L � V � F � R� 8 � Q � L � I � L � H � G � & � 0 � (� � � � � � � � � � � � � � � � � � � � � 7

U s a g e  G u i d e l i n e s

� 7 � K � L � V �F�R�P�P�D�Q�G

� G � H � V � L � J � Q � D � W � H � V
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For example, if you have a site at which the phones should use the displays and



In addition to











night-service bell
Tomark an IP phone to receive night-service bell notification when incoming calls are received on ephone-dns
that are marked for night service during night-service time periods, use the QLJKW�VHUYLFH EHOO command in
ephone or ephone-template configuration mode. To remove night-service notification capability from a phone,
use the QR form of this command.

QLJKW�VHUYLFH EHOO

QR QLJKW�VHUYLFH EHOO

Syntax Description This command has n



Examples The following example designates the IP phone that is being configured as a phone that will receive
night-service bell notification when ephone-dns marked for night service receive



night-service bell (ephone-dn)





night-service code
To define a code



When a night-service code has been defined



night-service date
To define a recurring time period associated with a date during which night service is active, use the
QLJKW�VHUYLFH



Examples The following example defines a night-service time period for the entire day of January 1:

Router(config)# WHOHSKRQ\�VHUYLFH
Router(config-telephony)# QLJKW�VHUYLFH GDWH MDQ � ����� �����

Related Commands



night-service day
To define a recurring time period associated with a day of the week during which night service is active, use
the QLJKW�VHUYLFH GD\ command in telephony-service configuration mode.

mo



Examples The following example defines a night-service time period from Monday at 7 p.m. to Tuesday at 9 a.m.:



night-service everyday
T









night-service weekend
To define a recurring night-service time period to be active on weekends, use the QLJKW�VHUYLFH ZHHNHQG
command in telephony-service configuration mode. To delete the







Related Commands



no-reg (voice register dn)
To





Examples The following example shows the



ntp-server
To specify the IP





number (ephone-dn)







night-service bell (voice register dn)
To mark a voice register dn for night-service treatment, use the QLJKW�VHUYLFH EHOO command in voice register
dn configuration mode. To remove the night-service treatment



Related Commands



night-service bell (voice register pool)
To



Related Commands



night-service bell (voice register template)
To mark a





number (voice register dn)
To associate a telephone or extension number





number (voice register pool)
To indicate the E.164 phone numbers that the registrar permits to handle the Register message from a Cisco
Unified SIP IP phone, use the





Related Commands



number (voice user-profile and voice logout-profile)
To create line definitions in





receptionist,









num-line
To define
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Cisco Unified CME Commands: O

ವ olsontimezone, page 852

ವ olsontimezone, page 854

ವ overlap-signal, page 856

ವ overwrite-dyn-stats (voice hunt-group), page 858
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olsontimezone
To





olsontimezone
To









overwrite-dyn-stats (voice hunt-group)
To overwrite statistics of previously joined dynamic agent with statistics of newly joined dynamic agents for
voice hunt group, use the RYHUZULWH�G\Q�VWDWV command in voice





ವ param queue-manager-debugs, page 916

ವ param queue-overflow-extensioM N

para

pa ವparam





paging
To define an extension (ephone-dn) as a paging extension that can be called to broadcast an audio page to a
set of Cisco IP phones, use the SDJLQJ command in ephone-dn



� Use the



ephone-dn 20
number 2000
paging ip 239.0.1.20 port 2000

ephone-dn 21
number 2001
paging ip 239.0.1.21 port 2000

ephone 1
button 1:1
paging〕0



paging group
To create a combined paging group from two or more previously established paging sets, use the SDJLQJ
JURXS command in ephone-dn configuration mode. To remove a paging group, use the QR form of this





ephone-dn 22
number 2002
paging ip 239.1.1.22 port 20480
paging group 20,21

ephone-dn 6
number 1103

ephone-dn 7
number 1104

ephone-dn 8
number 1105

ephone-dn 9
number 1199

ephone-dn 10
number 1198

ephone 1
mac-address 1234.8903.2941
button 1:6
paging-dn 20

ephone



id mac 1C17.D336.58DB
type 7961
number 1



paging-dn
To create a paging extension (paging-dn) to receive audio



Usage Guidelines To configure a set of phones to receive an audio page, follow these steps:

� Use the SDJLQJ command in ephone-dn configuration mode to define a number that people can



Examples The





Examples



param
To load and configure parameters in a package





Related Commands



param aa-hunt
To declare a



param aa-hunt3



param aa-pilot
To assign a pilot number to a Cisco Unified CME B-ACD automated attendant (AA) service, use the SDUDP
DD�SLORW command in application-parameter configuration mode. To remove



.

.

.
application
service callq tftp://192.168.254.254/user1/CallQ/B-ACD/app-b-acd.tcl
param queue-manager-debugs 1
param aa-hunt1 5071
param aa-hunt2 5072
param number-of-hunt-grps 2
param queue-len 10

!
service acdaa tftp://192.168.254.254/user1/CallQ/B-ACD/app-b-acd-aa.tcl
paramspace english location tftp://192.168.254.254/user1/prompts/
paramspace english index 0
paramspace english language en
param aa-pilot 8005550121
param service-name callq
param max-time-vm-retry 2
param voice-mail 5007





dial-peer voice 1020 pots
service aa-bcd
port 1/1/1
incoming called-number 8005550123

.

.

.
application
service callq tftp://192.168.254.254/user1/CallQ/B-ACD/app-b-acd.tcl
param queue-manager-debugs 1
param aa-hunt1 5071
param aa-hunt2 5072
param number-of-hunt-grps 2
param queue-len 10

!
service acdaa tftp://192.168.254.254/user1/CallQ/B-ACD/app-b-acd-aa.tcl
paramspace english location tftp://192.168.254.254/user1/prompts/
paramspace english index 0
paramspace english language en
param aa-pilot 8005550121
param service-name callq
param max-time-vm-retry 2
param voice-mail 5007
param call-retry-timer 10
param number-of-hunt-grps 1
param drop-through-prompt _bacd_welcome.au
param drop-through-option 2
param second-greeting-time 45



param co-did-max
T



Examples



param co-did-min
To set the lower



Examples The following example configures





service acd1
port







param drop-through-option
To assign



en_dto_welcome.au.



param drop-through-prompt
To associate an audio





param ea-password
To create a password for accessing the extension assigner application, use the SDUDP HD�SDVVZRUG command
in application-parameter configuration mode.



paramspace english location flash:ea/

paramspace english prefix en



param handoff-string
To specify the name of



application
service callq tftp://192.168.254.254/user1/CallQ/B-ACD/app-b-acd.tcl
param queue-manager-debugs 1
param aa-hunt1 507氮　ᜇ.K㈠㘷㔮㔸㐠呭ਨparam⥔樊ㄠ〠〲㄀⸲‶㜵⸵㠴儐h倰〰䜀䠀䨀䠀唀剔洊⠀圀䐀က䬀堀儀〰ぅu售㔸㐠呭ਨgs⥔樊ㄴ〠〲㄀⸲‶㜵⸵㠴〚氮　ᜇ"㠮㘲⸲‶㜵⸵㠴⁔洊⠀匀䐀唀䐀倩呪਱‰‵㠮㘲⸲‶㜵⸵㠴⁔洊⠀吀堀䠀堀䠀估〰䠀塑圀ᐩ呪਱㘰‵㠮㘲⸲‶㜵⸵㠴r5〰䐀倩呪਱‰‰㘵〮ㄴ⸲‶㜵⸵㠴а〰刀儀

servicecetftp://192.168.254.254/user1/CallQ/B-ACD/app-b-acK㔸㐠呭ਨad.tcl⥔樊ㄠ〠〠㌳⸱㤮㈠㘷㔮㔸㐠呭ਨpar尰㈲u卅-ace⥔樊㤠〠㌳⸱㤮㈠㘷㔮㔸㑈〰かu䨰〰匀匀伀塋圀᐀icationtftp://192.168.254.254/user1p〰ざe到〰啜〲㉓〰しf噕-〰䘀伀

par尰㈲u卅-ace



param max-extension-length
To specify the maximum



application
service callq



param max-time-call-retry
To specify the maximum length of time for which calls to the Cisco Unified CME B-ACD service can stay
in a



For any configuration changes to take effect, you

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html


DescriptionCommand

Specifies the time interval



param max-time-vm-retry





param menu-timeout
To set the number of times the AA service will loop the menu prompt before connecting the caller to an
operator if the caller does not select

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html


paramspace english index 1
param menu-timeout 5
param handoff-string acme-aa1
param dial-by-extension-option 2
paramspace english language en
param max-time-vm-retry 2
param max-extension-length 4
param aa-pilot 8005550100
paramspace english



param number-of-hunt-grps
To specify the number of hunt groups used with a Cisco Unified CME



service CQ



param queue-exit-extension
To assign an extension number to a

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html




param queue-exit-option
To assign a menu number to a call-queue exit option, use the SDUDP TXHXH�H[LW�RSWLRQ command in
application-parameter configuration mode. To disable this option, use the QR form of this command.

SDUDP

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html


Examples The following example



param queue-len
To specify



prompt and are directly connected to the single hunt



param queue-manager-debugs
To enable the collection of call-queue debug information



held in the call queue for each hunt group



param queue-overflow-extension
To set the extension number to route calls to when the call queue for the auto-attendant service is full, use the
SDUDP

http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html




param secondary-prefix
T



prefix is 7, the transformed number will be 7325. The transformed number matches a VV







http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html
http://www.cisco.com/en/us/docs/ios/voice/cdr/developer/guide/cdrdev.html


param voice-mail 5000
param service-name callq

Related Commands DescriptionCommand

Enters application configuration mode.DSSOLFDWLRQ

Reloads the selected voice application script after it
is modified.

FDOO DSSOLFDWLRQ YRLFH ORDG

Enables the gateway to send accounting CDRs to the
RADIUS server



param service-name
To specify a Cisco







Examples The following example configures Direct Inward Dial Digit TranslationrScavocrnrte





Examples The following



param voice-mail
To set an alternate destination number to which to route calls that cannot be connected to a hunt group that
is part of a



Formore



param welcome-prompt
To specify an audio file containing a prompt to be played as a welcome for callers to audtme



ವ Record a separate welcome prompt for each AA application, using a different





paramspace callsetup after-hours-exempt
To specify that an individual dial peer does not have any of its calls blocked by the Cisco



ವ In Cisco SIP



park reservation-group



!
!
ephone 3
park reservation-group 1
mac-address 002D.264E.54FA
type 7962
button 1:3

The following example shows park reservation-group 1 is assigned phone









ವ RecallಧIf you specify that a call should be recalled



!
!
ephone 3
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park-slot



password (auto-register)
To configure the mandatory password for automatic registration of SIP







Related Commands DescriptionCommand

Defines a VPN-profile.YSQ�SURILOH
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pattern direct
To configure the dual tonemultifrequency (DTMF) digit pattern forwarding



ModificationCisco ProductCisco IOS Release

This command was integrated into Cisco IOS
Release 12.2(8)T.

2.012.2(8)T

Usage Guidelines The SDWWHUQ GLUHFW command is used to configure the sequence of dual tone multifrequency (DTMF) digits
passed to a voice-mail system attached to the
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pattern direct





ModificationCisco Product
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pattern ext-to-ext busy





ModificationCisco ProductCisco IOS Release

This command was integrated into Cisco IOS
Release 12.2(8)T.

Cisco ITS 2.012.2(8)T

This command was added for Cisco SRST.Cisco SRST 2.0212.2(13)T

Usage Guidelines
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pattern trunk-to-ext busy
To configure the dual tonemultifrequency (DTMF) digit pattern forwarding panethefi t- a aJ e



ModificationCisco ProductCisco IOS Release

This command was integrated into Cisco IOS
Release 12.2(8)T.

Cisco SRST 2.0212.2(8)T

This command was added for Cisco SRST.Cisco ITS 2.012.2(13)T

Usage Guidelines The SDWWHUQ WUXQN�WR�H[W EXV\ command is used to configure the sequence of DTMF digits passed to a
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pattern trunk-to-ext busy



pattern trunk-to-ext no-answer
To configure the dual tonemultifrequency







phone-display
To enable a phone user to display voice hunt group information using the Services



phone-mode only
To enable Jabber phone-only client support, use the SKRQH�PRGH RQO\ command. To remove t the configuration,
use M e



phone-key-size
To specify the size of the RSA key pair that is generated on phones, use the SKRQH�NH\�VL]H command in
CAPF-server configuration mode.







phoneload-support
To define the phone support for firmware download from CME, use the SKRQHORDG�VXSSRUW command in
voice register pool-type mode. To disable phoneload support,



phone-redirect-limit (voice register global)
To set the number of 3XX responses an originating SIP phone in a in



phone-ui park-list
To enable a phone user to view the list



phone-ui speeddial-fastdial
To enable a phone user to





pickup-call any-group



Related Commands



pickup-group
To assign an extension to a call-pickup



You can assign each directory number to



pilot
To



For





pilot (voice hunt-group)
To define the number that callers dial to reach a Cisco Unified CME voice hunt group, use the SLORW command
in voice hunt-group configuration mode. To remove the pilot number



Examples



pin
To set a personal identification number (PIN) for an IP phone in a Cisco CallManager Express (Cisco CME)
system,



Examples



pin (voice logout-profile and voice user-profile)
To configure a personal identification number (PIN) for accessing a particular IP phone that is enabled





pin (voice register pool)
To set a personal identification number (PIN) to bypass the after-hour call block on a Cisco Unified SIP IP
phone,



port (CAPF-server)
Too



preemption reserve timer





Related Commands DescriptionCommand

Enables MLPP indication on an SCCP phone or
analog FXS port.



preemption trunkgroup
T



preemption user
To enable phones to preempt calls, use the SUHHPSWLRQ XVHU command in voice MLPP configuration mode.
To disable preemption capabilities, use the



preference (ephone-dn)
To set dial-peer preference order for an extension (ephone-dn)



dial peers are matched on the same destination-pattern (target) number value. In this way, the SUHIHUHQFH
command can be used to establish a hunt strategy for incoming calls.

The KXQWVWRS command can be used to prevent further hunting for a dial-peer match when an ephone-dn is
busy or does not answer.

Examples The following example



preference (ephone-hunt)
To set preference order for the ephone-dn associated with an ephone-hunt-group pilot number in Cisco Unified
CME, use the SU



Examples The following example sets the preference for the p lo



preference (voice hunt-group)
To set preference order for the voice dial peer



Examples The following





preference 2

In o l w ₲ el i c= n n ΄ rence

Ṍ c=





Examples The following example shows



presence
To enable presence service and enter presence configuration mode,



Related Commands



presence call-list
To enable Busy Lamp Field (BLF) monitoring for call

http://www.cisco.com/en/US/products/hw/phones/ps379/products_user_guide_list.html
http://www.cisco.com/en/US/products/hw/phones/ps379/products_user_guide_list.html


Examples The following example shows the BLF call-list feature enabled for ephone 1. The line status of a dire/ d s

d h at



presence enable
To



D e s c r i p t i o n � ' � L � V � S � O � D � \ � V

� F � R � Q � I � L � J � X � U � D � W � L � R � Q � L � Q � I � R � U � P � D � W � L � R � Q � D � E � R � X � W � W � K � H� S � U � H � V � H � Q � F � H � V � H � U � Y � L � F � H � � � V � K � R � Z

� S � U� H � V � H � Q � F � H� J � O � R � E � D � O � ' � L � V � S � O � D � \ � V � L � Q � I � R � U � P � D � W � L � R � Q � D � E � R � X � W � D � F � W � L � Y � H
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� W � R � P � R � Q � L � W � R � U � L � Q � W � H � U � Q � D � O � S � U � H � V � H � Q � F � H � H � Q � W � L � W � L � H � V � � � G � L � U � H � F � W � R � U � \ � Q � X � P � E � H � U � V � � � � � Z � D � W � F � K � H � U � D � O � O
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present-call
To present ephone-hunt-group calls only to member phones that are idle or onhook, use the SUHVHQW�FDOO
command in ephone-hunt configuration mode. To return to the default, use the QR form of this command.

SUHVHQW�FDOO {LGOH�SKRQH_ RQKRRN�SKRQH}

QR SUHVHQW�FDOO {LGOH�SKRQH_ RQKRRN�SKRQH}

Syntax Description Presents calls from the ephone-hunt group only if

group

if ᴙ

if ᴙ



not busy with an active call. This keeps hunt group calls from possibly going unanswered because a phone is
occupied with a call on a line other than the line assii tho tunt troup b Thi' uls TE smTs

Tp T' ep' Troup The TE one
Tho sc tg

Talls

Tnr E

Tho

TnN Thone '

a'



present-call (voice hunt-group)
To present voice



Related Commands





If you use an ephone template to apply a command to an ephone and you





!
!
ephone 10
privacy



privacy (voice register global)
To enable privacy at the system level for all SIP phones, use the SULYDF\ command in voice register global
configuration mode. To disable privacy at the system level, use the QR form of this command.

SULYDF\

QR SULYDF\

Syntax Description This command has no arguments or keywords.

Command Default Privacy is enabled at the system level for all phones.

Command Modes Voice register global configuration (config-register-global)

Command History ModificationCisco ProductCisco IOS Release

This command was introduced.Cisco Unified CME 7.112.4(22)YB



voice register pool 130
id mac 001A.A11B.500E
type 7941
number 1 dn 30
template 6
dnd
privacy ON

Related Commands



privacy (voice register pool)
To modify the phone-level privacy setting on a SIP phone, use the SULYDF\ command in



Examples The following example shows privacy enabled for a specific SIP phone:

Router(config)# YRLFH UHJLVWHU SRRO ���
Router(config-register-pool)# SULYDF\ RQ

Related Commands





Examples The following example shows the privacy button is enabled for ephone 10:

ephone 10
privacy-button
max-calls-per-button 3
busy-trigger-per-button 2
mac-address 00E1.CB13.0395
type 7960



privacy-button (voice register pool)
To enable



id mac 0017.E033.0284
type 7965
number 1 dn 24
privacy-button

Related Commands



privacy-on-hold



privacy-on-hold (voice register global)
To enable privacy for calls that are on hold



protocol mode
To configure the Cisco IOS Session Initiation Protocol (SIP) stack, use the SURWRFRO PRGH command in SIP
user-agent configuration mode. T



Examples The following example configures dual-stack as the protocol mode:

Router(config-sip-ua)# SURWRFRO PRGH GXDO�VWDFN
The following



protocol-mode (telephony-service)
To configure a preferred IP address mode for SCCP IP phones in Cisco Unified CMEr, use rthe SURWRFRO
PRGH command in telephony service configuration mode. To disable the router protocol mode, use the QR
form of this command.

SURWRFRO PRGH {
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Cisco Unified CME Commands: R

ವ refer target dial-peer, page 1040

ವ refer-ood enable, page 1042

ವ reference-pooltype, page 1044

ವ regenerate (ctl-client), page 1045

ವ register-id, page 1046

ವ registrar server (SIP), page 1048

ವ reset (ephone), page 1050

ವ reset (telephony-service), page 1052

ವ reset (voice logout-profile and voice user-profile), page 1055

ವ reset (voice register global), page 1057

ವ reset (voice register pool), page 1058

ವ reset (voice-gateway), page 1059

ವ reset tapi, page 1060

ವ restart (ephone), page 1061

ವ restart (telephony-service), page 1063

ವ restart (voice register), page 1065

ವ restart (voice-gateway), page 1067

ವ ring (ephone-dn), page 1068

ವ route-code, page 1070

ವ rule (voice translation-rule), page 1071





voice register dn 3
session-server 1
number 8101
allow watch
refer target dial-peer
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refer target dial-peer





Description

Displays all application debug messages.GHEXJ YRLS DSSOLFDWLRQ

Cisco Unified Communications Manager Express Command Reference    



reference-pooltype
To





register-id
To create an ID for explicitly identifying an external feature server during Register requests, use the UHJLVWHU�LG
command in voice register session-server configuration mode. To remove an ID, use the QR form of thistis



Related Commands



registrar server (SIP)
To enable SIP registrar functionality, use the UHJLVWUDU VHUYHU command in SIP configuration mode. To disable
SIP registrar functionality, use the QR form of the command.

UHJLVWUDU VHUYHU [H[SLUHV [PD[ VHF] [PLQ VHF]]

QR U





reset (ephone)
To perform a complete reboot of a single phone











reset (voice logout-profile and voice user-profile)
To perform a complete reboot of all IP phones on which a particular extension-mobility profile is downloaded,
use the UHVHW command in voice logout-profile

profiṯvoo ens logout rofiṯcoM b « ᴘ lo in ᴘ





reset (voice register global)
To perform a complete reboot of all SIP phones associated with a



reset (voice register pool)
To perform a complete reboot of a specific SIP phone associated with a Cisco CallManager Express



reset (voice-gateway)
To perform a complete reboot of all analog phones associated



reset tapi
To reset the









instead. The UHVHW VHTXHQFH�DOO



restart (voice register)
To perform a fast reset of one or all SIP phones associated with a Cisco Unified CME router, use the UHVWDUW
command in voice register global or voice register pool configuration mode. To cancel the reboot, use the QR
form of this command.

UHVWDUW

QR UHVWDUW

Syntax Description This command has no arguments or keywords.

Command Default SIP phones are not restarted.

Command Modes Voice register global configuration (config-register-global) Voice register pool configuration
(config-register-pool)

Command History



Examples



restart (voice-gateway)
To perform a fast restart of all analog phones associated





You



route-code
To



rule (voice translation-rule)
To define a translation rule, use the UXOH command in voice translation-rule configuration







Command History





Related Commands



Cisco Unified CME Commands: S1

ವ sast1 trustpoint, page 1079

ವ sast2 trustpoint, page 1081

ವ sdspfarm conference lecture mode on, page 1083

ವ sdspfarm conference mute-on mute-off, page 1085

ವ sdspfarm tag, page 1086

ವ sdspfarm transcode sessions, page 1088

ವ sdspfarm units, page



ವ service local-directory, page 1121

ವ service phone, page 1124

ವ service profile, page 1136

ವ service-digit, page 1137

ವ service-enable (auto-register), page 1139

ವ

1121

ವ



sast1 trustpoint
To specify the name of the SAST1 trustpoint, use the VDVW� WUXVWSRLQW command in CTL-client





sast2 trustpoint
To specify the name of the SAST2 trustpoint, use the VDVW� WUXVWSRLQW command in CTL-client







Related Commands





sdspfarm tag
To permit a digital-signal-processor (DSP) farm to be to registered to



.
Router(config)# WHOHSKRQ\�VHUYLFH

Router(config-telephony)# VGVSIDUP WDJ � PDF���D��DHD�FD��

Related Commands

Related Com.859 6G39081 173��6j
1 0 0 1HTj
/F0 10LW�H�O�HTj
/V�5�R 2.75G39081 173��W14��H�5�R!76.5G39081 173�����[H�O�P3�F�
(�W�D" l46G39081 173��Q3�F�
F�ER�Q�(�W�D�936.1G39081 173��6)Tj
I(�W�DD.32G39081 173��W14�U000��Q00P)Tj
1 000��GH�O�Q092 Tm
(��)T859 6G35961 173��000H)Tj
/FVj
/FVj
/FL0�





DescriptionCommand

Specifies the maximum number of DSP farms that
are allowed to K gas wed fa yiesthetheDSPfarms





DescriptionCommand

Specifies the maximum number of transcoding
sessions allowed per Cisco CME router.

VGVSIDUP WUDQVFRGH



sdspfarm unregister force
To remove all transcoding streams associated with active calls, use the VGVSIDUP XQUHJLVWHU IRUFH command
in telephony-service configuration mode.
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sdspfarm unregister force



secondary dialtone (voice port)
To allow dialed digits





list 3011, 3021, 3031
timeout 10
final 7600
secondary start 3

Related Commands



secondary-dialtone
To activate



secure-signaling trustpoint
To specify the name of the PKI trust





Related Commands



server (CTL-client)
To enter trustpoint information for the CAPF server, Cisco Unified CME router, or TFTP server into the router
configuration, use the VHUYHU command in CTL-client configuration mode. To return to the default, use the
QR form of this command.

VHUYHU {FDSI





server (presence)
T





server-security-mode
To change the security mode of the Cisco Unified CME phone authentication server, use the
VHUYHU�VHFXULW\�PRGH command in telephony-service configuration mode. To change the mode from secure



To remove this command from your configuration and revert to the state before the Cisco Unified CME
security feature was activated, use the HUDVH keyword and follow the instructions displayed on the console.
When you use this command with the HUDVH keyword, the router checks

co uc tisco tI ve tlr c ts tucn uF vt c tiel asg iel .

commaR fe g







The following example



service dnis dir-lookup
To allow the display of names associated with called numbers for incoming calls on IP phones, use the VHUYLFH
GQLV GLU�ORRNXS



number 0001
ephone-dn 2
number 0002

ephone-dn 2
number 0002

ephone 1
button 1o1,2,3

ephone 2
button 1o1,2,3

ephone 3
button 1o1,2,3
The following is an example of an ephone-dn configuration in which the overlay function









service dss
To enable DSS (Direct Station Select) in a Cisco Unified CME system, use the VHUYLFH GVV command in
telephony-service configuration mode. To globally disable the DSS feature, use the QR form of this command.

VHUYLFH GVV

QR VHUYLFH GVV

Syntax Description This command has no arguments or keywords.

Command Default DSS service is disabled.

Command Modes Telephony-service configuration (config-telephony)

Command History



Related Commands



service https (ephone-template)
To locally provision Hypertext Transfer Protocol Secure (HTTPS) services access from Cisco Unified SCCP
IP phones on Cisco Unified CME, use the VHUYLFH KWWSV command in ephone-template configuration mode.
To disable access to HTTPS services, use the QR form of this command.

VHUYLFH KWWSV

QR VHUYLFH KWWSV







service https (voice register template)
To locally provision Hypertext Transfer Protocol Secure (HTTPS) services access from Cisco Unified SIP
IP phones on Cisco Unified CME, use the VHUYLFH KWWSV command in voice register template configuration
mode. To disable access to HTTPS services, use the QR form of this command.

VHUYLFH KWWSV

QR VHUYLFH KWWSV

Syntax Description This command has no arguments or keywords.

Command Default Cisco Unified SIP IP phones are unable to access HTTPS services on Cisco Unified CME.

Command Modes Voice register template configuration



service local-directory
To enable the availability of the local directory service on IP phones served by the Cisco Unified
Communications Manager Express (Unified CME)



When you configure the XUO GLUHFWRULHV command with the URL and credentials of the server that hosts the
local directory, the command takes precedence over VHUYLFH ORFDO�GLUHFWRU\>DXWKHQWLFDWH@
>XVHUQDPH@>SDVVZRUG@.



Hence, the XML files



service phone
To modify the vendorConfig parameters in the configuration file, use the VHUYLFH SKRQH command in
telephony-service or ephone-template configuration mode. To disable a setting, use the QR form of this
command.

VHUYLFH SKRQH SDUDPHWHU�QDPH SDUDPHWHU�YDOXH

QR VHUYLFH SKRQH SDUDPHWHU�QDPH SDUDPHWHU�YDOXH

Syntax Description



The vendorConfig section of a configuration file is read by a phoneಬs firmware when that Cisco Unified IP
phone is booted. The number and type of parameters may vary from one firmware version to the



Table 15: vendorConfig Parameter-Name and Parameter-Value Descriptions

















Router(config-telephony)#







service-digit



Description

Command

�(�Q�D�E�O�H�V

�S�U�H�H�P�S�W�L�R�Q �F�D�S�D�E�L�O�L�W�\ �R�Q �D�Q�6�&�&�3�S�K�R�Q�H �R�U

�D�Q�D�O�R�J

�)�;�6 �S�R�U�W��

�P�O�S�S

�S�U

�H�H�P�S�W�L�R�Q
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Cisco Unified CME Commands: S1



service-enable (auto-register)
To re-enable the auto-registration of SIP phones on Unified CME that is temporarily disabled, use the
VHUYLFH�HQDEOH command in voice auto register configuration mode. This command



WHPSODWH Default template for auto-register phones

Router(config-voice-auto-register)#no service-enable ?
<cr>

Related Commands



service-domain
To set the global MLPP domain type and number,§



Related Commands



service-domain (voice class)
To set the service domain name in the MLPP voice class, use the VHUYLFH�GRPDLQ command in voice class
configuration mode. To reset to thevoicM



DescriptionCommand

Assigns an MLPP





Examples



session-server





session-transport
To specify the transport layer protocol that a SIP phone uses to connect to Cisco Unified CME, use the
VHVVLRQ�WUDQVSRUW command in voice register pool



Examples The following example sets the transport layer protocol to TCP for SIP phone 10:



Cisco Unified CME Commands: S2

ವ shared-line,



ವ show ephone summary types, page 1205

ವ show ephone tapiclients, page 1206

ವ show ephone telephone-number, page 1207

ವ show ephone unregistered, page « «



ವ show telephony-service tftp-bindings, page 1298

ವ show telephony-service voice-port, page 1300

ವ show voice emergency, page 1302

ವ show voice emergency addresses,





ವ srst dn line-mode, page 1468

ವ srst dn template, page 1470

ವ srst ephone description, page 1472

ವ srst ephone template, page 1474

ವ srst mode auto-provision, page 1476

ವ standby username password, page 1478

ವ statistics



shared-line
To create a directory number to







Examples The



show capf-server
To display CAPF server configuration and session information, use the VKRZ FDSI�VHUYHU command in



001121116BDD 922
000D299D50DF 9182
000ED7B10DAC 3114
000F90485077 3328
0013C352E7F1 0678
The following example output displays active sessions between



show credentials
To display the



Table 17: show credentials Field Descriptions



show cti
To display the status of the CTI subsystem, use the VKRZ FWL command in privileged EXEC mode.

VKRZ FWL {FDOO_ JFLG| OLQH QRGH_ VHVVLRQ}

Syntax Description





Related Commands

DescriptionCommand

�&�O�H�D�U�V �W�K�H �V�H�V�V�L�R�Q �E�H�W�Z�H�H�Q �D �&�6�7 �$ �F�O�L�H�Q�W �D�S�S�O�L�F�D�W�L�R�Q

�D�Q�G �&�L�V�F�R �8�Q�L�I�L�H�G �&�0�(��

�F�O�H�D�U �F�W�L �V�H�V�V�L�R�Q
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show ephone
To





dn 6 number 6006 CH1 IDLE CH2 IDLE overlay shared
button 2: cw:1 ccw:(0 0 0 0 0 0 0 0)

dn 42 number 6042 CH1 IDLE CH2 IDLE CH3 IDLE CH4 IDLE
CH5













show ephone cfa
To display status and information on the registered phones that have call-forward-all set on one or more of



show ephone dn
To display phone information for specified dn-tag or for all dn-tags, use the VKRZ HSKRQH GQ command in
privileged EXEC mode.

VKRZ HSKRQH GQ [ GQ�WDJ ]

Syntax Description



show ephone dnd
To display information on the registered phones that have



show ephone login
To display the login states of all local IP phones, use the VKRZ HSKRQH ORJLQ command in privileged EXEC
mode.HSKR㈰ㄮ⸰〰】



ephone 3 Pin enabled:FALSE

The following is sample output from the VKRZ







Related Commands



show ephone offhook
To display



G711Ulaw64k 160 bytes no vad
Tx Pkts 0 bytes 0 Rx Pkts 0 bytes 0 Lost 0
Jitter 0 Latency 0 callingDn -1 calledDn -1 (media path callID 19288 srcCallID 1
9289)
Username:user1 Password:newuser
The VKRZ HSKRQH describes significant fields in this output.

Related Commands



show ephone overlay
To display



Related Commands DescriptionCommand

Displays statistical information about registered Cisco
IP phones.

VKRZ



show ephone phone-load
To





show ephone registered
To display the status of registered phones, use the VKRZ HSKRQH UHJLVWHUHG command in privileged EXEC
mode.

VKRZ HSKRQH UHJLVWHUHG

Syntax Description





show ephone registered summary
To display the details of a







show ephone ringing
To display information on phones that are ringing, use the VKRZ HSKRQH ULQJLQJ command in privileged
EXEC mode.

VKRZ HSKRQH ULQJLQJ

Syntax Description This command has no arguments or keywords.

Command Modes Privileged EXEC

Command History�H�G



show ephone rtp connections
To display active Real-Time Transport Protocol (RTP) call information on ephone call legs, use the VKRZ
HSKRQH UWS FRQQHFWLRQV command

Tὴ Tύ tve







show ephone socket
To display IP addresses (IPv4, IPv6, or dual-stack) being used by ephone sockets, use the VKRZ HSKRQH VRFNHW
command in privileged EXEC mode.

VKRZ HSKRQH VRFNHW

Syntax Description







3



show ephone summary
To display brief information about Cisco IP



Skinny Music



show ephone summary types
To display the total countthe



show ephone tapiclients
To display status of ephone Telephony Application Programming Interface (TAPI)



show ephone telephone-number
To display information for the phone associated



show ephone unregistered
To display information about unregistered phones, use the VKRZ HSKRQH XQUHJLVWHUHG command in privileged
EXEC mode.

VKRZ HSKRQH XQUHJLVWHUHG

Syntax Description This command has no arguments or keywords.

Command Modes Privileged EXEC



show ephone unregistered summary
To display the details of all the unregistered Skinny Call Control Protocol (SCCP) phones sorted by ephone
tag, use the VKRZ HSKRQH XQUHJLVWHUHG VXPPDU\ command in privileged EXEC mode.

VKRZ HSKRQH XQU



Table 28: show ephone unregistered summary field descriptions





Playout-delay Nominal is set to 60 ms
Playout-delay Maximum is set to 200 ms
Playout-delay Minimum mode is set to default, value 40 ms
Playout-delay Fax is set to 300 ms
Connection Mode is normal
Connection Number is not set
Initial Time Out is set to 10 s
Interdigit Time Out is set to 10 s
Call Disconnect Time Out is set to 60 s
Ringing Time Out is set to 180 s
Wait Release Time Out is set to 30 s
Comu⠀䰀⸷⥔樊ㄱ〰☀䰀堀圀



Non Linear Mute is disabled
Non Linear















Related Commands



show ephone-dn conference
To display information about ad hoc and



Meetme 0 4 1111
DN tags: 15, 16
Ad-hoc 0 4 7777
DN tags: 20, 21
Router# sh ephone-dn conference ad-hoc video
type active inactive numbers
================================================
Ad-hoc-video 3

3



show ephone-dn loopback
To







show ephone-dn paging
To display configuration information on paging groups, use



The





show ephone-dn park
To display information about call-park slots inn





show ephone-dn statistics



0 0 0 0 0 0 0 0 0 0 0 0 0 00㐷㌴⁔洊⠀ጩ呪਱‰‰‱‱㠷⸲‷〱⸰㈴⁔㘹㈮㔴〓



show ephone-dn summary



Description
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show ephone-dn whisper
To display information



The following table describes the



show ephone-hunt
To display ephone-hunt configuration information and current status



[20119 30 0 login



[20143 0 0 - down]
102, aux-number A100A9702, # peers 2, logout 0, down 2

on-hook time stamp 7616, off-hook agents=0
peer-tag dn-tag rna login/logout up/down
[20145 142 0 login down]
[20144 141 0 login down]

all agents down!
preference: 0
members initial state: logout
preference (sec): 7
timeout: 100, 100, 100
hops: 0
E.164 register: yes
auto logout: no
stat collect: no

Examples The following example shows a summary output. See the table for descriptions of significant fields in the
output.

Router# VKRZ HSKRQH�KXQW VXPPDU\
Group 1

type: peer〲㐀㈷⸷㘱⁬㤠〠〰〰ጀༀfo'⠀䰀儀䰠㔲㜮㈰利‰‰呪਱

membı⸲, stat〱ㄮ㈀ༀlog′⸷㜶〰ᨀ

timeou㐰㈮㜷㘰〚
ho̹㐳⁔㘰〓

regist̸㔮㠠〠ご樊㄀

GroĀ
typU㘸⸸᐀mਨinit〰㌸㔮㠶〮㌰〰唰㈴⥔樊ㄠ〠〠ㄠㄶ㌮‰⁐'㘱⁬ਵ㜶‵㈷⸷㘱㠶〮㌰〰唰㈴ER㠲⸳〴⁔氊㔷㘠㔲㜮㜶ㄠ氹‰‰〰〓㔱⸸ༀ㈷⸷㘱⁬㤠〠ㄮ〲㈰刀fo'⠀䰀儀䰠ㄮ〲㈰利‰‰呪੕〲㐀





Table 38: show ephone-hunt Auto Logout Examples









show ephone-hunt statistics
To display



http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html
http://www.cisco.com/en/us/docs/voice_ip_comm/cucme/bacd/configuration/guide/40bacd.html


Agent: 8006
From Direct







show fb-its-log
To display information about the Cisco



---- History ------
overwrites:0
missed:0



DescriptionField



show ip address trusted list
To display a list of trusted ip addresses, use the VKRZ LS DGGUHVV WUXVWHG OLVW command in privileged EXEC
mode.

VKRZ LS DGGUHVV WUXVWHG OLVW

Syntax Description This command has no arguments or keywords.

Command Modes Privileged EXEC











Subscription Duration : 1751 seconds
line status : idle
watcher type : local
presentity type : local
Watcher phone type : SIP Phone
subscription type : Incoming Indication
retry limit : 0
sibling subID : 0
sdb : 0
dp : 6555346C
watcher dial peer tag : 40001
number of presentity : 1⠀儁′㔴⸴‶〷⸷㐴⁔洊⠴㠰䘀唀䰀匀圀䰀刀儩呪਱‰‰‱′〱⸶‷〱⸰㈴⁔洊⠀✀堀匨㐸うrش⁔洊⠀ᴩ呪਱‰‰⠴㠰䘀唀⁔洊⠀ᐩ呪਱‰‰⠴㠰䘀唀⁔㈵⠀儀堀倅㠲⸳〰䬀䠀唩呪਱‰‰‱‱㜷⸶‶㘷⸱〴⁔洊⠀匀䬱‰‰⠸㈮㌰かe=呭ਨ1⥔樊ㄠ〠〨㠲⸳〰䬀䠀⁔洱‰‰‱‱㌹⸲‶〷⸷㐴⁔洵⸷㐴⌰㈴⥔樊ㄠ〠〠㄰㜮㜴㐠呭㄰㈳1⥔樊㄰㈴⥔樊ㄠ〠〠ㄠ㈷㠮㐠㜊ㄠ〠〠㄰ㅈ=呭ㄠ〠〠ㄠㄠ㈵㐮㐠㘰㜮㜴㐠呭ਨ㘵⸳㐰䠩呪਱‰‰‱‱がty⥔樊ㄠ〠〠ㄠ䘴⁔洊⠀嘀堀樊ㄠ〨㘵⸳㐰䠩呪਱‰․〠ㄠ䘴⁔洰ㄮ㘠㜰ㄮす㐠呭ਨtyp⠶㔮㌴え⥔樊ㄠ〠がption⥔樊ㄠ〠〠ㄠ㈰ㄮ㘠㜰ㄮ〲㐠呭ਨDuظㄠ〨㘵⸳㐰䠩呪਱‰‵嘩呪਱‰‰‱‱㌹⸲⁕㤲⸵㐴⁔洊䠀⁔洊⠀ᐩ呪㐴⁔洊⠵㘮㠹⸲‶㌳⸱㠴㐀〲਱呪ᐩ㌀〲洱⁔㐴⸷〷‱‰‰਱呪㐩〲㐣㜴㘮呭㐠㜴㜮㄰〠〠ㄠ樊〠〠ㄠ樊⥔10e။⠀洊⁔䠀䬀㈰⸴㌱〨ㄵ㠴⸱㐠ㄸ‮㠴⸱㐠樸⥔reか㐲⠵洊⁔〴⸱㘷‶⸶㜷‱‱‰‰਱呪唩䠀䬀⸹㈲〵ㄠ樊⥔pd⸩㌹‱‱‰吰=ㅈ㄰〠〠ㄠ㜊㐠㠮㈷ㄠ〠〠ㄠ樊⥔㈴㄰樊⥔1㈳㄰呭㐠㜴㜮㄰〠〠ㄠ樊⥔㈴⌰㐴⸷洶⁔㐴⸷〷‱‰‰਱呪㐩〲〳ㄠ樊⥔C64㈶㌰ㄳ〠〠ㄠ樊⥔〕⁔䠀䬀㈰⸴〱〨〠ㄠ樊⥔1ਨ呭=eか㐲ㄮ⠳‰‰䬱匀⠀洊⁔〴⸱㘷‶⸶㜷‱‱‰‰਱呪唩䠀䬀㈰⸴㌱〵ㄠ樊⥔pdਨ㌹‱‱‰吰=rう㤰ぐ⠰‰‰਱呪ᐩ⠀洊⁔唀䘀〰倹〰〨〠ㄠ樊⥔:ਨ呭㐠唆䘀〰倹〰匨堀✀⠀洊⁔㈴⸰〱‷⸶〱′‱‰‰਱呪儩刀䰀圀匀䰀唀䘀〰倹〰ਨ呭㐠樴⥔1 㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮㠴⸱㐠ㄸ‮



The





show sdspfarm
To display the status of the configured digital signal processor



codec:G729 duration:20 vad:0 peer Stream-ID:4
Stream-ID:4 mtp:2 1.5.49.160 17072 Local:2000 START
usage:MoH (DN=3











show shared-line
To display information about the Session



Message queue size: 20, Event queue size: 64

The following is sample output from the VKRZ VKDUHG�OLQH VXEVFULSWLRQ





show telephony-service admin
To display information





show telephony-service all
To display detailed configuration for phones, voice ports, and dial peers in a Cisco Unified Communications
Manager Express (Cisco Unified CME) system, use the VKRZ8Ȁ䬀䠀

⨮㌀䬀䠀㐶՘VH

0̀㤳〠ㄠㄴ㈮㐳㘷⸳㈸‶㐴⸳㜴⁔洊㐰〰〃9㌰‱‱㐲⸴〰嘀



type 0
button 1:1











The





show telephony-service conference hardware
T



Examples The following is a sample output that displays information for a four-party ad-hoc hardware conference.
Extension 8044 created the conference by calling extension



cur(initial)
========================================================================









show telephony-service ephone
To display configuration for the Cisco IP phones, use the VKRZ WHOHSKRQ\�VHUYLFH HSKRQH command in user
EXEC or privileged EXEC mode.

VKRZ WHOHSKRQ\�VHUYLFH HSKRQH

Syntax Description This command u

uu

uur e

ur



conference add-mode all
conference admin: No





show telephony-service ephone-dn
To display information about extensions (ephone-dns) in a Cisco CallManager Express (Cisco CME) system,
use the VKRZ WHOHSKRQ\�VHUYLFH HSKRQH-GQ command in user EXEC or privileged EXEC mode.

VKRZ WHOHSKRQ\�VHUYLFH HSKRQH�GQ

Syntax Description This command





show telephony-service ephone-dn-template
To display information ay



show telephony-service ephone-template
To display the contents of ephone-templates, use the VKRZ WHOHSKRQ\�VHUYLFH HSKRQH-WHPSODWH command
in user EXEC or privileged EXEC mode.

VKRZ WHOHSKRQ\�VHUYLFH HSKRQH�WHPSODWH

Syntax Description This command



conference add-mode all
conference admin: No
max-calls-per-button 8
busy-trigger-per-button 0
privacy default
MLPP max precedence level -1
MLPP indication Enabled
MLPP preemption Enabled
Always send media packets to this router: No
Preferred codec: g711ulaw
keepalive 30 auxiliary







show telephony-service fac
To display current feature access codes (FACs), use the VKRZ WHOHSKRQ\�VHUYLFH IDF



show telephony-service security-info
To display the security-related information that is configured under telephony-service, use the VKRZ
WHOHSKRQ\�VHUYLFH VHFXULW\�LQIR s s sonfiguretion , show et



show telephony-service tftp-bindings
To display the current configuration files accessible to IP phones, use the VKRZ WHOHSKRQ\�VHUYLFH WIWS�ELQGLQJV
command in user EXEC or privileged EXEC mode.

VKRZ WHOHSKRQ\�VHUYLFH WIWS�ELQGLQJV

Syntax Description This command has no arguments or keywords.

Command Modes User EXEC Privileged EXEC









show voice emergency
To display the IP address, subnet mask, and ELIN for each emergency response location, use



show voice emergency addresses
To display address information for each emergency response location, use the VKRZ HPHUJHQF\ DGGUHVVHV
command in user EXEC or privileged EXEC mode.







Related Commands DescriptionCommand

Specifies a comma separated text entry (up to 250
characters) of an ERL
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show voice fac statistics
To display the FAC failure statistics collected by the system, usecstatisti¡



show voice hunt-group
To display configuration information associated with one or all voice hunt groups in a Cisco Unified
Communications Manager Express (Cisco Unified CME) system, use the VKRZ YRLFH KXQW�JURXS command
in privileged EXEC mode.

VKRZ YRLFH KXQW�JURXSKXQW�JU RXW�W儀䐀䠀





preference: 0
preference (sec): 0
timeout: 180
final_number:
hops: 3
phone-display: No

Group 15
type: peer
pilot number: 56789, peer-tag 56789
list of numbers:

MEMBER USED_BY STATE LOGIN/LOGOUT
======= ======= ======== ============
87654321 87654321 DOWN Login
9876 9876 UP Logout
87654 87654 DOWN -

preference: 0
preference (sec): 0

timeout: 180
final_number:
hops: 3
phone-display: Yes
The following

er

ɬ m ɶU int e 1 ilo;mma

Y ᴘ



87654321 87654321 UP Login
987654321 987654321 DOWN Logout







show voice hunt-group statistics
To display call statistics from voice hunt groups, use the VKRZ YRLFH KXQW�JURXS VWDWLVWLFV command in
privileged EXEC mode.

YRLFHȹRLFF㌠㄰⁔昊ㄠさ



KXQW�JURXS VWDWLVWLFV FROOHFW command. Additional



Total calls presented to the queue: 5
Calls handoff to IOS:









Mode is srst







Number is 45111
Preference is 0
Huntstop is disabled
Auto answer is disabled
Pool 1 has this DN configured for line 1

Dn Tag 2
Config:

Number is 45112

45111



Call Waiting is enabled
DnD is disabled
Busy trigger per button value is 0
call-forward phone all is 4566
call-forward b2bua all 4555
keep-conference is enabled
Lpcor Type is none
Transport type is udp
service-control mechanism is not supported
Privacy feature is not configured.
Privacy button is disabled
Reason for unregistered state:

No registration request〰䠀reĀ刀



Number list



Proxy Ip address is 0.0.0.0
DTMF Relay is disabled
Call Waiting is enabled
DnD is disabled
Busy trigger per button value is 0
keep-conference is enabled
Lpcor Type is none
Transport type is udp
service-control mechanism is not supported
Privacy feature is not configured.
Privacy button is disabled
Reason for unregistered state:

No registration request since last reboot/unregister
Dialpeers created:
Statistics:

Active registrations : 0
Total SIP phones registered: 0
Total Registration Statistics

Registration requests : 0
Registration success : 0
Registration failed : 0
unRegister requests : 0
unRegister success : 0
unRegister failed : 0
Attempts to register

after last unregister : 0
Last register request time :
Last unregister request time :
Register success time :
Unregister success time :

The following is an example of a partial output of the VKRZ YRLFH UHJLVWHU DOO command, showing KEM data
with the



Table 57: show voice register all Field Descriptions





show voice register credential
To display configuration information associated with a credential file used for authorization, use the VKRZ
YRLFH UHJLVWHU FUHGHQWLDO command in privileged EXEC mode.

VKRZ YRLFH UHJLVWHU FUHGHQWLDO

Syntax Description







call-fwd-all 4555
after-hours-exempt FALSE

dial-peer voice 40002 voip
destination-pattern 45113
session target



show voice register dialplan
To display all configuration information for a specific SIP dial plan, use the VKRZ YRLFH UHJLVWHU GLDOSODQ
command in privileged EXEC mode.

VKRZ YRLFH UHJLVWHU GLDOSODQ{WDJ_ DOO}

Syntax Description N N N plan







show voice register dn
To display all configuration information associated with a specific voice register dn, use the VKRZ YRLFH
UHJLVWHU GQ command in privileged EXEC mode.

VKRZ YRLFH UHJLVWHU GQ{WDJ_ DOO}

Syntax Description



Examples The









Examples The following is a sample output from the





DescriptionCommand

Enters voice register global configuration mode to
set global parameters for



show voice register hfs
To display the HTTP
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show voice register hfs



show voice register pool
To display all configuration information associated with a specific



ModificationCisco ProductCisco IOS Release

This command was modified. The DOO and EULHI
keywords were added. Voice-class stun-usage
information is displayed in the output.



The following is a sample





Pool Tag









show voice register pool after-hour-exempt
To display the details of a phone that has after-hour-exempt enabled on it, use the VKRZ Y圀

ⵥ硥浰琀



Table 63: show voice register pool after-hour exempt field descriptions



show voice register pool attempted-registrations
To display the details of phones that attempt to register with Cisco Unified CME or Cisco Unified SRST and
fail, use the VKRZ YRLFH UHJLVWHU SRRO DWWHPSWHG�UHJLVWUDWLRQV command in privileged EXEC mode.

VKRZ YRLFH UHJLVWHU SRRO DWWHPSWHG�UHJLVWUDWLRQV

Syntax Description This command has no arguments or keywords.

Command Modes Privileged EXEC

Command History ModificationVersionCisco IOS Release

This command was introduced.Cisco Unified CME 8.1 Cisco Unified
SRST 8.1

15.1(2)T

Usage Guidelines Use this command to display the details of the

phoneP



The following is



show voice register pool cfa
To display the voice register pool details of a phone that has Call Forward All (CFA) enabled, use the VKRZ
YRLFH UHJLVWHU SRRO FID



Related Commands



show voice register pool connected
To display the details of





Related Commands



show voice register pool ip
To display the details of a SIQ ho









show voice register pool on-hold



Examples

Examples The following is a sample output from this command displaying information for phones





show voice register pool phone-load
To display the details



show voice register pool registered
To display



contact IP address: 8.3.3.111 port 5060
Dialpeers created:
Dial-peers for Pool 1:
dial-peer voice 40001 voip
destination-pattern 45111
session target ipv4:呭ਨ5060⥔樊ㄠ〠〠ㄠㄲ㤮㘠㘹㈮㔴㐠呭ਨDiact⥔樊ㄠけ䨱′〶⸴‶㔸⸶㈴c⸵㠴⁔‱‱㈹⸶‶㤮㘠㘸㐮〶㐠呭㐰挶㐴⁔㙈rn















Related Commands



show voice register pool ringing
To





show voice register pool telephone-number
To display the details





show voice register pool type
To display the details ofof



Pool ID IP Address Ln DN Number State
==== =============== =============== == === ==================== ============
1 001B.535C.D410 8.3.3.111 1 1 45111 REGISTERED

4 7 451110





show voice register pool type summary
To display the total count



show voice register pool unregistered
To display the details of the voice registration pools that do not



Related Commands



show voice register profile
To display the content of configuration files that are in ASCII text format, use the VKRZ YRLFH UHJLVWHU SURILOH
command in privileged EXEC mode.

VKRZ YRLFH UHJLVWHU SURILOH WH[W WDJ

Syntax Description Unique identifier for voice register profile to be
displayed. Range is 1ದ500.

WDJ

Command Modes Privileged EXEC

Command History



Table 68: show voice register profile Field Descriptions



Related Commands



show voice register session-server
To display the call details of theo





show voice register statistics
To display statistics associated with



When using the global keyword, the show voice register command output displays the aggregate statistics
associated with SIP phone registration. The output of this command also M



Active registrations : 1
Total SIP phones registered: 2
Total Registration Statistics

R egistration requests : 97715
Registration success : 3
Registration failed : 97712
unRegister requests : 1
unRegister success : 1
unRegister failed : 0
Attempts to register

after last unregister : 97712
Last register request M〰嘀圀





show voice register template
To display all





Config:
Attended Transfer is enabled
Blind Transfer is enabled
Semi-attended Transfer is enabled
Conference softkey













Related Commands



sip-prefix
To add "SIP_" prefix in the locale names while populating the configuration



snr
To enable Single Number



Usage Guidelines This command enables the SNR feature on the extension. The SNR feature allows users to answer incoming
calls on their desktop IP phone or at a remote destination and to pick up in-progress calls on





Command History ModificationRelease

This command was





snr answer-too-soon
To set the SNR answer to soon timer, use the snr



snr answer-too-soon (voice register dn)
To set the time in which Single Number Reach (SNR) ( r iprSfr((tiNch tm ilb
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snr calling-number local
To replace the calling-party



DescriptionCommand

Enables the Mobility feature on an extension of an
SCCP IP phone.

PRELOLW\

Enables SNR on



snr calling-number local (voice register dn)
To replace the calling party number displayed o



snr mode
To set



Related Commands



snr ring-stop
T









softkeys connected (voice register template)
Tomodify the soft key display during the connected call state on Cisco Unified SIP IP phones, use the VRIWNH\V
FRQQHFWHG command in voice register template configuration mode. To return to the default, use the QR formIP





Related Commands



softkeys connected
To modify the







softkeys hold
To configure an ephone template to modify soft-key

sot y

m

u

s

o

f

t

-

y



Usage Guidelines You reach the call-hold state by pressing the Hold soft key while you are in the connected state. From the
hold state, you can press Resume to return to the connected state or NewCall to start another call, leaving the
original call in the call-hold state.

The number and order of soft keys listed in the VRIWNH\V KROG correspond to the number and order of soft
keys that will appear on IP phones.

Configure the Join and Select soft keys

keys ca mbe keys =







The ConfList (including the Remove, Update, and Exit soft keys within the ConfList function) and RmLstC
soft keys do not work on the Cisco Unified IP Phone 7902 and Cisco Unified IP Phone 7935 and 7936.

Note

Examples In the following example, ephone template 1 is configuredthe idle stage andthe alerting and connected
call stages:

Router(config)# HSKRQH�WHPSODWH �
Router(config-ephone-template)# VRIWNH\V LGOH 5HGLDO &IZGDOO 3LFNXS
Router(config-ephone-template)# VRIWNH\V DOHUWLQJ &DOOEDFN (QGFDOO
Router(config-ephone-template)# VRIWNH\V FRQQHFWHG

&RQIUQ

+ROG (QGFDOO

Related Commands







softkeys remote-in-use
To modify the order and type of soft keys that display on the IP phone during the remote-in-use call state, use
the VRIWNH\V UHPRWH�LQ�XVH command in



Related Commands



softkeys remote-in-use (voice register template)
To modify the





softkeys ringin (voice register template)
To modify the soft-key display during the ringing call state on



Usage Guidelines





You can enter any of the





softkeys seized



Command History





softkeys seized (voice register template)



ModificationCisco ProductCisco IOS Release

This command was integrated into Cisco IOS
Release 12.4(15)T.

Cisco Unified CME 4.112.4(15)T

This command was modified. The0HHW0H
keyword was added.

Cisco Unified CME 9.015.2(2)T

Usage Guidelines The seized calling state is

t



source-addr
To



source-address (voice register global)
To identify the IP address and port





speed-dial
To create speed-dial





Prior to Cisco IOS Releases 12.3(11)XL and 12.3(14)T, speed-dial entries that were in excess of the number
of physical phone buttons



speed-dial (voice logout-profile and voice user-profile)
To



ModificationCisco ProductCisco IOS Release

This command was integrated into Cisco
IOS Release 12.4(20)T.

Cisco Unified CME 7.012.4(20)T

Usage Guidelines Use this command in voice user-profile configuration mode to



speed-dial (voice register pool)
To



Usage Guidelines The VSHHG�GLDO command





srst dn line-mode
To specify



or 7920, or an analog



srst dn template
To





srst ephone description
To specify a description to be associated with an



Related Commands



srst ephone template
To specify an ephone





srst mode auto-provision
To enable Survivable Remote Site Telephony (SRST) mode for a Cisco Unified CallManager Express (Cisco
Unified CME) router, use the VUVW PRGH DXWR�SURYLVLRQ command in telephony-service configuration mode.
To return to the default, use the QR form of this command.

VUVW PRGH DXWR�SURYLVLRQ {DOO_ GQ_ QRQH}

QR VUVW PRGH DXWR�SURYLVLRQ

Syntax Description



or ephone and ephone-dn configuration



standby username password
To specify that the standby (secondary backup) router XML interface is enabled, use the VWDQGE\ XVHUQDPH
SDVVZRUG command in



Related Commands DescriptionCommand



statistics collect
To enable the collection of call statistics for an ephone hunt group, use the VWDWLVWLFV FROOHFW command in
ephone-hunt configuration mode. To stop statistics collection and to delete statistics that have been collected,
use the QR form of this command.

VWDWLVWLFV FROOHFW

QR VWDWLVWLFV FROOHFW

Syntax Description This command has no arguments or keywords.

Command Default The default is no call statistics data is collected.

Command Modes Ephone-hunt configuration (config-ephone-hunt)

Command History

http://www.cisco.com/en/US/products/sw/voicesw/ps4625/products_configuration_guide_book09186a00805f22ca.html


Related Commands



statistics collect (voice hunt-group)
To enable the collection of call statistics for a voice



subnet
To



Examples In the



system message
To set a text message for





Cisco Unified CME Commands: T

ವ telephony-service, page 1489

ವ telnet-support, page 1495

ವ template (auto-register), page 1496

ವ template (voice





telephony-service



http://www.cisco.com/en/US/docs/voice_ip_comm/cucme/admin/configuration/guide/cmeadm.html


Table 73: Cisco CME Setup Tool Dialog Prompts





DescriptionCisco CME Setup Tool Prompt

First number in





telnet-support
To enable the telnet access for the phone, use the WHOQHW�VXSSRUW





<1-10> template tag
Router(config-voice-auto-register)#template



template (voice register pool)
To apply a template to a SIP phone, use the



Router(config-register-pool)# WHPSODWH �

Related Commands



tftp-path (voice register global)
To specify the directory to which the configuring files for



D e s c r i p t i o nC o m m a n d



tftp-server-credentials trustpoint
To specify the PKI trustpoint that signs the





time-format (voice register global)
To set the time display format on



timeout (ephone-hunt)
To define the number of seconds after which a call that is not answered is redirected to the next number in a
hunt-group list in



If you configure









timeouts busy
To set



timeouts interdigit (telephony-service)
To set the interdigit timeout value for all Cisco IP phones in a Cisco Unified CME system, use the WLPHRXWV
LQWHUGLJLW command in telephony-service configuration mode. To return to the default value, use the QR form



Related Commands Description

Configures the interdigit timeout value for a specified
voice port.



timeouts interdigit (voice register global)
To set the interdigit timeout value



timeouts night-service-bell
To specify



Related Commands



timeouts ringing (telephony-service)
T





If the transferor is busy at the time of the recall, Cisco Unified CME attempts the recall again after the retry
timer



timeouts transfer-recall (voice register global)





timeouts transfer-recall (voice register dn)
To enable Cisco Unified CME to recall a transferred call if the transfer-to party does not answer or is busy,
use the WLPHRXWV WUDQVIHU�UHFDOO command in voice register dn configuration mode. To reset to the default





time-webedit (telephony-service)
T





time-zone
To set the time zone so that the correct



Syntax Description



Numeric code for a named time zone. The following
are the selections. The numbers in parentheses
indicate the offset from Coordinated Universal T







ವ ��ಧRomance Standard/Daylight Time (+120)

ವ ��ಧCentral Europe Standard/Daylight Time
(+120)

ವ ��ಧSouth Africa Standard Time (+120)

ವ ��ಧJerusalem Standard/Daylight Time (+120)

ವ ��ಧSaudi Arabia Standard Time (+180)㠴䰀倀䠀



56ಧ



timezone (voice register global)
To set the time zone used for SIP phones in a Cisco Unified CME system, use the







Offset in MinutesDescriptionNumber

-180Pacific SA Daylight Time55

-240Pacific SA Standard Time56

Examples The following example shows how top set the time zone to 8, Central Standard Daylight Time:

Router(config)# YRLFH UHJLVWHU JOREDO
Router(config-register-global)# WLPH]RQH �

Related Commands



transfer max-length
To specify the maximum length of the transfer number, use the WUDQVIHU PD[�OHQJWK command in voice
register





transfer-attended (voice register template)
T





transfer







dialed digits are passed on without being buffered until the digits are matched and the consultative call-leg
moves to



transfer-mode
To specify the type of call transfer for an individual IP phone extension





transfer-park blocked
To prevent extensions on



number 236
ephone 25
button 1:11 2:12 3:13
transfer-park blocked

The following example uses an ephone template to prevent ephone 26 and extension 76589 from
parking calls at any call-park slot.

ephone-dn 33
number 76589

ephone-template 1
transfer-park blocked

ephone 26
button 1:33
ephone-template 1

The following example sets up a dedicated park slot for the extensions on ephone 6 and blocks transfers to
call park from extensions 2977, 2978, and 2979 on that phone. Those extensions can still park calls at the
phone's dedicated park slot by using the Park soft key R S e e call-park



transfer-pattern (telephony-service)
To allow



When



transfer-pattern blocked
To block all call transfers for a specific Cisco Unified SIP



Related Commands





Command History



Table 75: Transfer Method Recommendations

Transfer Method
Recommendation

transfer-system to Usetransfer-system DefaultCisco Product

Use H.450.2 for call transfer.
Because this



http://www.cisco.com/cgi-bin/tablebuild.pl/ip-iostsp
http://www.cisco.com/cgi-bin/tablebuild.pl/ip-iostsp
http://www.cisco.com/cgi-bin/tablebuild.pl/ip-iostsp


translate (ephone-dn)
To apply a translation rule in order to manipulate the digits that are dialed by users of Cisco Unified IP phones,
use the WUDQVODWH



The translation rule mechanism inserts a delay into the dialing process when digits are entered that do not
explicitly match any of the defined translation rules. This delay is set by the interdigit timeout. The
translation-rule mechanism uses the delay to ensure thatthe



translate callback-number
To assign a translation





translate-outgoing (voice register pool)
To allow an explicit



Translation rules must be



translation-profile
To assign a translation



Examples The following example assigns the translation profile named call_in to handle translation of incoming calls
and a translation profile







transport (voice register pool-type)
To define the default transport type supported by the new phone, use the WUDQVSRUW command in voice register
pool-type mode. To remove the description, use the QR form of this command.

Syntax Description (Optional) Selects UDP as the transport layer protocol. This is the default transportd e p o Optional)



trunk
To associate an ephone-dn with a foreign exchange office (FXO) port, use the WUXQN command in ephone-dn
configuration mode. To disassociate the ephone-dn from the trunk number, use the QR form



Usage Guidelines Use this





trustpoint (credentials)
To specify the name of the trustpoint to be associated with a Cisco



Router(config-credentials)# LS VRXUFH�DGGUHVV ������������ SRUW ����
Router(config-credentials)# WUXVWSRLQW FWOSY
Router(config-credentials)# FWO�VHUYLFH DGPLQ XVHU� VHFUHW � F��/�R

Examples The following example enters credentials configuration mode, sets the IP source addressddreu nte ddreu ourc t ra Tɶ e oint



trustpoint-label
To specify the PKI trustpoint label to be used for the TLS connection between the CAPF server and







ವ ����ಧCisco Unified IP Phone 7942.

ವ ����ಧCisco Unified IP Phone 7945

ವ ����ಧCisco Unified IP Phone 7960G.

ವ ����ಧCisco Unified IP Phone 7961G.

ವ ����*(ಧCisco Unified IP Phone



(Optional) Tells the router that outs



Command History





Related Commands DescriptionCommand

Adds a Cisco



type (voice register dialplan)
To specify a phone type for a SIP dial plan, use the W\SH command inin



The phone type specified with this command must match the phone type specified with the W\SH





Syntax Description SKRQH�W\SH
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type (voice register pool)



Type of SIP phone that is being defined. Valid entries
are as follows:

ವ ����ಧCisco Unified IP Phone 3905.

ವ ����ಧCisco Unified IP Phones 3911 and 3951.

ವ ����ಧCisco Unified IP Phone 6901.

ವ ����ಧCisco Unified IP Phone 6911.

ವ ����ಧCisco Unified IP Phone 6921.

ವ ����ಧCisco Unified IP Phone 6922.

ವ ����ಧCisco Unified IP Phone 6941.

ವ ����ಧCisco Unified IP Phone 6945.

ವ ����ಧCisco Unified IP Phone 6961.

ವ ����ಧCisco Unified IP Phones 7821.

ವ ����ಧCisco Unified IP Phones 7841.

ವ ����ಧCisco Unified IP Phones 7861.

ವ ����ಧCisco Unified IP Phones 7905 and
7905G.

ವ ����ಧCisco Unified IP Phone 7906G.

ವ ����
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����ಧCisco Unified IP Phone 9900.ವ

ವ ����ಧCisco Unified IP Phone 9951.

ವ ����ಧCisco Unified IP Phone 9971.

ವ $





Router(config-register-pool)# W\SH ���� DGGRQ � &.(0 � &.(0



type (voice-gateway)
To define the type of voice gateway to autoconfigure,



Related Commands
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upa
To specify the audio file used for the unauthorized precedence



Related Commands



upgrade (voice register global)
To generate a OS79XX.TXT file for firmware upgrades, use the XSJUDGH command in voice register global
configuration mode. To return to the default, use the QR form of this



Related Commands



url (telephony-service)
To provision uniform resource locators (URLs)



Command Default





url (voice register global)
To provision uniform resource locators





url (voice register template)
To define SIP phone URLs to configure dial rules such as Application Dial Rule, Directory Lookup Dial Rule,
and LDAP server, use XUO $SS'LDO5XOH, XUO 'LU/RRNXS5XOH, and XUO OGDS6HUYHU commands



You can define the location of a file to display on phones that are not in use, and specify the interval between
refreshes of the display using



url authentication
To instruct IP phones in Cisco Unified CME to send requests for authorization to a particular authentication
server and



Usage Guidelines This command specifies to which authentication server an IP phone in Cisco Unified CMEmust send requests
for authorization and what credential to send in the



url idle
To specify a

http://www.cisco.com/en/us/docs/voice_ip_comm/cuipph/all_models/xsi/3_3_2/english/programming/guide/ipphs332.html
http://www.cisco.com/en/us/docs/voice_ip_comm/cuipph/all_models/xsi/3_3_2/english/programming/guide/ipphs332.html
http://www.cisco.com/en/us/docs/voice_ip_comm/cuipph/all_models/xsi/3_3_2/english/programming/guide/ipphs332.html










Examples The following examples shows three URL buttons configured on a line key:

!
telephony-service
max-ephones 25



url-button (voice-register-template)
To configure service url feature button o





user (voice logout-profile)
To create an authentication credential for use by Telephone Application Programming Interface (TAPI) phone
devices and certnV d

a



The user name parameter of any authentication credential must be unique. Do not use the same value for a
user name when you configure any two or more authentication credentials in Cisco Unified CME, such as the
username for any Cisco United CME



user (voice user-profile)
To create an authentication credential to be used by Extension Mobility in Cisco Unified CME, use the
username comma in



Examples The following example shows the



user-locale (ephone-template)
To specify a user locale in an ephone template, use the XVHU�ORFDOH command in ephone-template



network-locale 1
ephone-template 2
user-locale 2
network-locale 2

ephone-template 3
user-locale 3
network-locale 3

ephone 11
button 1:25
ephone-template 1

ephone 12
button 1:26
ephone-template 2

ephone 13
button 1:27
ephone-template 3

ephone 14
button 1:28

Related Commands Description

Specifies the type of configuration files that phones
use.

FQI�ILOH

Applies an ephone template to an ephone.HSKRQH�WHPSODWH �HSKRQH�

Sets the language for displays on supported phone
types.

XVHU�ORFDOH �WHOHSKRQ\�VHUYLFH�
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user-locale (telephony-service)





User-locale 0 always holds the default language that is used for all SCCP phones that are not assigned alternative
user locales or



The following







user-locale (voice register)
To



ವ '(ಧGermany

ವ '.ಧDenmark

ವ (6ಧSpain

ವ )5ಧ





softkeys idle Redial DND Gpickup Pickup Cfwdall
softkeys connected Endcall Hold Confrn Park Trnsfer
softkeys remote-in-use Barge NewDB地e



username (ephone)
To assign a login





username (voice register pool)
To assign an authentication credential to a phone



Router(config-register-pool)# XVHUQDPH VPLWK SDVVZRUG �JROI
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vad (voice register template)
To enable voice



vca
To specify



invalid-number
!
!
voice mlpp㈹⸶‶㠴⸰㘴䠀䘀䰀刀　⸱㘷㘶ㄶ㔲㔮㘷㐠㠮ㄵ堠儀䐰〠〠報儀䐰〠〠䘠䰀〰㔰〳〠ㄠ䬊ぇ〰䝖 ⸶㈹こ〰䱉刀　⸱昷栊氊㐳㔸㔮㘷㐠㠮ㄵ䐠〠〠䘠䰀刀　⸱㘷㘶㜰㘠㤮ㄲ洊ㄠ㔶‮



video
To enable video capability on Cisco Unified IP





video (ephone)
To enable video capabilities for an SCCP phone in Cisco Unified CME, useu vid ieᴓ iᴔ p vi 5 usʹ u





video (telephony-service)
To enter video configuration mode for setting video parameters for all video-capable phones in Cisco Unified
CME, use the YLGHR command in telephony-service configuration mode. To reset global video





video screening (voice service sip)
To enable transcoding and transsizing between two call legs when configuring SIP, use the YLGHR VFUHHQLQJ
command in sip configuration mode. To



video-bitrate (ephone)
To specify



vm-device-id (ephone)
To define a voice-messaging



Related Commands



vm-integration
To enter voice-mail integration configuration mode and enable voice-mail integration with dual tone





voice class mlpp
To create





it goes to the PSAP. The PSAP will see that



voice emergency response settings
To define 911 call behavior settings, use the YRLFH HPHUJHQF\ UHVSRQVH VHWWLQJV command in d



routed to extension 7500. The outbound 911 calls do not cause a syslog message to the logging facility (for
example, to the local buffer, console, or remote host).

voice emergency response settings
callback 7500
elin 4085550101
expiry 120
no logging

Related Commands

T00\0PT00\�V�O�D�J�H

170009lT00\�V�O?.09788486.29Tm
(2700K6lT00\�V�O?.00VQ00H)Tj
11.20Tm
41.843lT00\�V�O�R�O�H��0O�68338\�V�O�Q�L
1 0P68.079 698.573 Tm
0�68338\�V�O�VQ00H



voice emergency response zone
To create an emergency response zone, use the YRLFH HPHUJHQF\ UHVSRQVH ]RQH command in global
configuration mode. To remove the created voice emergency response zone, use the QR form ofth ommadehe

voiceV spŞ ¨ ů dehṃ ů voic
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voice emergency response zone



voice hunt-group
To create a hunt group for phones in a Cisco Unified CommunicationsManager Express (Cisco Unified CME)
or Cisco Unified Session Initiation ssio









voice-hunt-groups login
To



Examples The following example













voice lpcor custom
To define the logical partitioning class of restriction (LPCOR) resource groups on the Cisco Unified CME
router, use the YRLFH





voice lpcor enable
To enable logical partitioning class of



DescriptionCommandDescription









index3local_g1dhcp-poolpool1voicelpcorip-phonesubnetoutgoingindex1local_g410.1.10.23255.255.255.0vrfvrf-group2index͌⸀唀vr묰がroup255.0vr儀䝜〰㘀嬀3



voice lpcor ip-trunk subnet incoming
To



DescriptionCommand

Associates a LPCOR resource-group policy with an
incoming call.

OSFRU LQFRPLQJ

Creates a LPCOR IP-phone subnet table for calls to
or from a mobility-type phone.

YRLFH OSFRU LS�SKRQH VXEQHW





accept voicemail
!
The LPCOR policy for pstn blocks calls from the siptrunk, h323trunk, and voicemail groups:

voice lpcor policy pstn
!
The LPCOR policy for voicemail accepts calls from the siptrunk, h323trunk, and pstn groups:

voice lpcor policy voicemail
accept siptrunk
accept h323trunk
accept pstn

The



voice mlpp
To enter MLPP configuration mode to enable



voice moh-group
T





voice register dialplan
To enter voice register dialplan configuration mode to define a dial plan for







Router(config-register-dn)#











voice register pool-type
To enter voice register pool-type configuration mode and



(Optional)



xml-config busyTrigger 3
voice register pool 10
type



voice register session-server



A single Cisco Unified CME can support multiple session



voice register template
To enter voice register template configuration modemK



Related Commands



voice user-profile
To enter voice user-profile configurationmode and create a user profile for downloading by ExtensionMobility
for a particular individual phone user, use the YRLFH XVHU�SURILOH command in global configuration mode. To
delete an logout profile, use the QR form of this command.

YRLFH XVHU�SURILOH SURILOH�WDJ

QR YRLFH XVHU�SURILOH SURILOH�WDJ

Syntax Description Unique number that identifies this profile during
configuration tasks. Range: 1 to three times the
maximumnumber supported phones, wheremaximum
is platform







Examples The following partial sample output from the VKRZ UXQQLQJ�FRQILJ command shows that voice register pool
1 has been set up to use the previously configured codec voice class 1:

voice register pool 1
id mac 0030.94C2.A22A
preference 5
cor incoming call91 1 91011
translate-outgoing called 1
proxy 10.2.161.187 preference 1 monitor probe



voice-class mlpp (dial peer)
To assign a





voice-class stun-usage





voice-gateway system
To enter voice-gateway configuration mode and create a voice gateway configuration, use the YRLFH�JDWHZD\
V\VWHP command in global configurationmode. To remove the configuration, use the QR form of
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voicemail (voice register global)
T



D e s c r i p t i o n � ( � Q � W � H � U � V � Y � R � L � F � H � U � H � J � L � V � W � H � U � J � O � R � E � D � O



voicemail (voice register template)
To define the extension that calls are forwarded to when an extension does not answer, use the YRLFHPDLO
command in voice register template configuration mode. To disable the voicemail extension, use the QR form
of this command.

YRLFHPDLO SKRQH�QXPEHU WLPHRXW WLPHRXW

QR YRLFHPDLO

Syntax Description





voice-port (voice-gateway)
To identify the analog ports on the voice gateway that register to Cisco Unified CME, use the YRLFH�SRUW
command in voice-gateway configuration mode. To remov voS rhe rorts o rhe voice-port



Related Commands



vpn-gateway
To enter vpn-gateway url, use the vpn-gateway f



Related Commands



vpn-group
To enter vpn-group mode, use the vpn-group command





vpn-hash-algorithm
To specify the algorithm to hash the VPN certificate provided in the configuration file downloaded to the
phone, use the vpn-hash-algorithm command in vpn-group configurationmode. To disable vpn-hash-encryption,
use the QR form of this command.

YSQ�KDVK�DOJRULWKP VKD��

QR YSQ�KDVK�DOJRULWKP

Syntax Description Encryption algorithm.VKD��

Command Default vpn-hash-algorithm is not configured

Command Modes Vpn-group configuration (conf-vpn-group)

Command History



Related Commands DescriptionCommand



vpn-profile



Related Commands



vpn-trustpoint



vpn-group 1
vpn-gateway 1









web admin system
To define b o





web customize load
To



Cisco Unified CME Commands: X

ವ xml-config,





Router(config-register-pool-type)#



xmlschema



xmltest
Effective with Cisco Unified CME 4.0, the [POWHVW command was



xmlthread
Effective



xml user
To define a user who is authorized to use XML applications to execute commands, use the



Examples The following example defines user23 as an authorized user at level 15:
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